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@ Signal transmission system. 

@ At the transmitter side, carrier waves are modulated according to an input signal for producing 
relevant signal points in a signal space diagram. The input signal is divided into two, .first and second. 
data streams .. The signal points are divided into signal point groups to -which data of the first data "sir earn"" 
are assigned. Also, data of the second data stream are assigned to the signal points of each signal point 
group. A difference in the transmission error rate between the first and second data streams is 
developed by shifting the signal points to other positions in the space diagram. At the receiver side, the 
first and/or second data streams can be reconstructed from a received signal. In TV broadcast service, a 
TV signal is divided by a transmitter into two, low and high, frequency band components which ere 
designated as a first and a second data stream respectively. Upon receiving the TV signal, a receiver can 
reproduce only the low frequency band component or both the low and high frequency band 
components, depending on its capability. 
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BACKGROUND OF THE INVENTION 
1, Field of the Invention 

The present invention relates to a signal transmission system for transmission of a digital signal through 
demodulation of its carrier wave. 



2.Description of the Prior Art 

10 Digital signal transmission systems have been used in various fields. Particularly, digital video signal trans- 
mission techniques have been improved remarkably. 

Among them is a digital TV signal transmission method. So far, such digital TV signal transmission systems 
are in particular use for e.g. transmission between TV stations. They will soon be utilized for terrestrial and/or 
satellite broadcast service in every country of the world. 

15 The TV broadcast systems including HDTV, PCM music, FAX, and other information service are now de- 
manded to increase desired data in quantity and quality for satisfying millions of sophisticated viewers. In par- 
ticular, the data has to be increased in a given bandwidth of frequency allocated for TV broadcast service. The 
data to be transmitted is always abundant and provided as much as handled with up-to-date techniques of the 
time. It is ideal to modify or change the existing signal transmission system corresponding to an increase in 

20 the data mount with time. 

However, the TV broadcast service is a public business and cannot go further without considering the in- 
terests and benefits of viewers. It is essential to have any new service appreciable with existing TV receivers 
and displays. More particularly, the compatibility of a system is much desired for providing both old and new 
services simultaneously or one new service which can be intercepted by either of the existing and advanced 

25 receivers. 

It is understood that any new digital TV broadcast system to be introduced has to be arranged for data 
extension in order to respond to future demands and technological advantages and also, for compatible action 
to allow the existing receivers to receive transmissions. 

The expansion capability and compatible performance of prior art digital TV systems will be explained. 
30 A digital satellite TV system is known in which NTSC TV signals compressed to a about 6 Mpbs are mul- 
tiplexed by time division modulation of 4 PSK and transmitted on 4 to 20 channels while HDTV signals are car- 
ried on a single channel. Another digital HDTV system is provided in which HDTV video data compressed to 
as small as 15 Mbps are transmitted on a 16 or 32 QAM signal through ground stations. 

Such a known satellite system permits HDTV signals to be earned on one channel by a conventional man- 
25 ner, thus occupying a band of frequencies equivalent to some channels of NTSC signals. This causes the cor- 
responding NTSC channels to be unavailable during transmission of the HDTV signal. AJso. the compatibility 
between NTSC and HDTV receivers or displays is hardly concerned and the data expansion capability needed 
for matching a future advanced mode is utterly disregarded. 

Such a common terrestrial HDTV system offers an HDTV service on conventional 16 or 32 QAM signals 
40 without any modification. In any analog TV broadcast service, there are developed a lot of signal attenuating 
or shadow regions within its service area due to structural obstacles, geographical inconveniences, or signal 
interference from a neighbor station. When the TV signal is an analog form, it can be intercepted more or less 
at such signal attenuating regions although its reproduced picture is low in quality. If the TV signal is a digital 
form, it can rarely be reproduced at an acceptable level within the regions. This disadvantage is critically hostile 
4$ to the development of any digital TV system. 

This problem is caused due to the fact that the conventional modulation systems such QAM arrange the 
signal points at constant intervals. There have been no such systems that can change or modulate the arrange- 
ment of signal points. 



50 SUMMARY OF THE INVENTION 



It is an object of the present invention, for solving the foregoing disadvantages, to provide a signal trans- 
mission system arranged for compatible use for both the existing NTSC and introducing HDTV broadcast ser- 
vices, particularly via satellite and aJso. for minimizing signal attenuating or shadow regions of its service area 
on the ground. 

A signal transmission system according to the present invention comprises two major sections: a trans- 
mitter having a signal input circuit a modulator circuit for producing m numbers of signal points, where mS5. 
in a signal vector field through modulation of a plurality of out-of-phase carrier waves using an input signal sup- 
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plied from the input, and a transmitter circuit (or transmitting a resultant modulated signals and a receiver having 
an input circuit for receiving the modulated signal, a demodulator circuit for demodulating one-bit signal points 
of a QAM carrier wave, and an output circuit 

In operation, the input signal containing a first data stream of n values and a second data stream is fed to 

5 the modulator circuit of the transmitter where a modified m-bit QAM carrier wave is produced representing m 
signal points in a vector field. The m signal points are divided into n signal point groups to which the n values 
of the first data stream are assigned respectively. Also, data of the second data stream are assigned to m/n 
signal points or sub groups of each signal point group. Then, a resultant transmission signal is transmitted from 
the transmitter circuit. Similarly, a third data stream can be propagated. 

10 At the p-bK modulator circuit, p>m. of the receiver, the first data stream of the transmission signal is first 
demodulated through dividing p signal points in a signal space diagram into n signal point groups. Then, the 
second data stream is demodulated through assigning p/n values to p/n signal points of each corresponding 
signal point group for reconstruction of both the first and second data streams. If the receiver is at p=n, the n 
signal point groups are reclaimed and assigned the n values for demodulation and reconstruction of the first 

15 data stream. 

Upon receiving the same transmission signal from the transmitter, a receiver equipped with a large sized 
antenna and capable of large-data modulation can reproduce both the first and second data streams. A receiver 
equipped with a small sized antenna and capable of small-data modulation can reproduce the first data stream 
only. Accordingly, the compatibility of the signal transmission system will be ensured. When the first data stream 

io is an NTSC TV signal or low frequency band component of an HDTV signal and the second data stream is a 
high frequency band component of the HDTV signal, the small-data modulation receiver can reconstruct the 
NTSC TV signal and the large-data modulation receiver can reconstruct the HDTV signal. As understood, a 
digital NTSC/HDTV simultaneous broadcast service will be feasible using the compatibility of the signal trans- 
mission system of the present invention. 

25 More specifically, the signal transmission system of the present invention comprises: a transmitter having 

a signal input circuit, a modulator circuit for producing m signal points, where ma5, in a signal vector field 
through modulation of a plurality of out-of-phase carrier waves using an^nput signal supplied from the input, 
and a transmitter circuit for transmitting a resultant modulated signal, in which the main procedure includes re- 
ceiving an input signal containing a first data stream of n values and a second data-stream, dividing the m signal 

30 points of the signal into n signal point groups, assigning the n values of the first data stream to the n signal 
point groups respectively, assigning data of the second data stream to the signal points of each signal point 
group respectively, and transmitting the resultant modulated signals and a receiver having an input circuit for 
receiving the modulated signal, a demodulator circuit for demodulating p signal points of a QAM carrier wave, 
and an output circuit, in which the main procedure includes dividing; the p signal points into n signal point groups, 

as demodulating the first data stream of which n values are assigned to the n signal point groups respectively, 
and demodulating the second data stream of which p/n values are assigned to p/n signal points of each signal 
point group respectively. For example, a transmitter 1 produces a modified m-bit QAM signal of which first sec- 
ond, and third data streams, each carrying n values, are assigned to relevant signal point groups with a mod- 
ulator 4. The signal can be intercepted and reproduced the first data stream only by a first receiver 23, both 

-w the first and second data streams by a second receiver 33, and alt the first, second, and third streams by a 
third receiver 43. More particularly, a receiver capable of demodulation of n-bit data can reproduce n bits from 
a multiple-bit modulated carrier wave carrying an m-bit data where m>n, thus allowing the signal transmission 
system to have compatibility and capability of future extension. Also, a multilevel signal transmission will be 
possible by shifting the signal points of QAM so that a nearest signal point to the origin point of l-axis and Q-axis 

-*5 coordinates is spaced nf from the origin where f is the distance of the nearest point from each axis and n is 
more than 1. 

Accordingly, a compatible digital satellite broadcast service for both the NTSC and HDTV systems wBI be 
feasible when the.frst data stream carries an' NTSC signal and the second data stream carries a difference 
signal between NTSC and HDTV. Hence, the capability of corresponding to an increase in the data amount to 
so be transmitted will be ensured. Also, at the ground, its service area will be increased wh2e signal attenuating 
areas are decreased. 

BRIEF DESCRIPTION OF THE DRAWINGS 

55 Fig.1 is a schematic view of the enSre arrangement of a signal transmission system showing a first embo- 
diment of the present invention; 

Fig.2 is a block diagram of a transmitter of the first embodiment; 

Fig. 3 is a vector diagram showing a transmission signal of the first embodiment; 
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Fig.4 is a vector diagram showing a transmission signal of the first embodiment 

Fig. 5 is a view showing an assignment of binary codes to signal points according to the first embodiment; 
Fig. 6 is a view showing an assignment of binary codes to signal point groups according to the first embo- 
diment; 

5 Fig.7 is a view showing an assignment of binary codes to signal points in each signal point group according 

to the first embodiment; 

Fig, 8 is a view showing another assignment of binary codes to signal point groups and their signal points 
according to the first embodiment; 

Fig .9 is a view showing threshold values of the signal point groups according to the first embodiment, 
10 Ftg, 10 is a vector diagram of a modified 16 QAM signal of the first embodiment; 

Fig.1 1 is a graphic diagram showing the relation between antenna radius r 2 and transmission energy ratio 
n according to the first embodiment; 

Fig. 12 is a view showing the signal points of a modified 64 QAM signal of the first embodiment; 
Fig. 13 is a graphic diagram showing the relation between antenna radius r 3 and the transmission energy 
1$ ratio n according to the first embodiment 

Fig. 14 is a vector diagram showing signal point groups and their signal points of the modified 64 QAM signal 
of the first embodiment 

Fig.1 5 is an explanatory view showing the relation between A, and A 2 of the modified 64 QAM signal of 
the first embodiment 

20 Fig.16 is a graphic diagram showing the relation between antenna radius r 2 ,r 3 and transmission energy ratio 

n ia ,n M respectively according to the first embodiment; 

Fig. 17 is a block diagram of a digital transmitter of the first embodiment; 

Fig.18 is a signal space diagram of a 4 PSK modulated signal of the first embodiment; 

Fig.1 9 is a block diagram of a first receiver of the first embodiment; 
25 * Fig.20 is a signal space diagram of a 4 PSK modulated signal of the first embodiment; 

Fig.21 is a block diagram of a second receiver of the first embodiment; 

Fig.22 is a vector diagram of a modified 16 QAM signal of the first embodiment; 

Fig.23 is a vector diagram of a modified 64 QAM signal of the first embodiment; 

Fig. 24 is a flow chart showing an action of the first embodiment; 
so Figs.25-a and 25-b are vector diagrams showing an 8 and a 16 QAM signal of the first embodiment re- 

spectively; 

Fig .25 is a block diagram of a third receiver of the first embodiment; 
Fig.27 is a view showing signal points of the modified 64 QAM signal of the first embodiment 
Fig.28 is a flow chart showing another action of the first embodiment 
25 Fig .29 is a schematic view of the entire arrangement of a signaJ transmission system showing a third embo- 

diment of the present invention; 

Fig. 30 is a block diagram of a first video encoder of the third embodiment 
Fig .31 is a block diagram of a first video decoder of the third embodiment; 
Fig. 32 is a block diagram of a second video decoder of the third embodiment 
40 Fig. 3 3 is a block diagram of a third video decoder of the third embodiment 

Fig. 34 is an explanatory view showing a time multiplexing of D Xt D 2 , and D 3 signals according to the third 
embodiment 

Fig. 35 is an explanatory view showing another time multiplexing of the D,, Dj, and Dj signals according 
to the third embodiment 

4S Fig. 36 is an explanatory view showing a further time multiplexing of the D,, and D 3 signals according 

to the third embodiment 

Fig. 37 is a schematic view of the entire arrangement of a signal transmission system showing a fourth 
embodiment of the present invention; 

Fig.38 s a vector diagram of a modified 16 QAM signal of the third embodiment 
50 Fig. 39 is a vector diagram of the modified 16 QAM signaJ of the third embodiment 
Fig.40 is a vector diagram of a modified 64 QAM signal of the third embodiment 
Fig.4 1 is a diagram of assignment of data components on a time base according to the third embodiment 
Fig .42 is a diagram of assignment of data components on a time base in TDMA action according to the 
third embodiment 

55 Fig .4 3 is a block diagram of a carrier reproducing circuit of the third embodiment 

Fig .44 is a diagram showing the principle of carrier wave reproduction according to the third embodiment 
Fig. 4 5 is a block diagram of a earner reproducing circuit for reverse modulation of the third embodiment 
Fig.45 is a diagram showing an assignment of signal points of the 16 QAM signal of the third embodiment 
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Fig.47 is a diagram showing an assignmenl of signal points of the 64 QAM signal of the third embodiment; 
Fig.48 is a block diagram of a carrier reproducing circuit for 16x multiplication of the third embodiment; 
Fio.49 is an explanatory view showing a time multiplexing of Dyi. D M i. Dyj. D^, Dv* and D«3 signals ac- 
cording to the third embodiment; 
5 Fig. 50 is an explanatory view showing a TDMA time multiplexing of the D V1( D H i, Dv,, D Ml Dvj, and D„, 

signals according to the third embodiment; 

Fig.51 is an explanatory view showing another TDMA time multiplexing of the Dyi. Dmi, Dw. d w. and 
Dks signals according to the third embodiment; 

Fig.52 is a diagram showing a signal interference region in a known transmission method according to the 
io fourth embodiment: 

Fig.53 is a diagram showing signal interference regions in a multi-level signal transmission method accord- 
ing to the fourth embodiment; 

Fig.54 is a diagram showing signal attenuating regions in the known transmission method according to the 
fourth embodiment; 

is Fig.55 is a diagram showing signal attenuating regions in the multi-level signal transmission method ac- 
cording to the fourth embodiment; 

Fig.56 is a diagram showing a signal interference region between two digital TV station according to the 
fourth embodiment; 

Fig.57 is a diagram showing an assignment of signal points of a modified 4 ASK signal of the fifth embo- 
20 diment 

Fig.58 is a diagram showing another assignment of signal points of the modified 4 ASK signal of the fifth 
embodiment 

Figs.53-a and 59-b are diagrams showing assignment of signal points ; of the modified 4 ASK signal of the 
fifth embodiment 

25 Fig.60 is a diagram showing another assignment of signal points of the modified 4 ASK signal of the fifth 

embodiment when the C/N rate is low; 

Fig. 61 is a block diagram of a transmitter of the fifth embodiment; 

Figs.62*a and 62*b>are diagrams showing frequency distribution profiles of an ASK modulated signal of 

the fifth embodiment 
33 Fig.63 is a block diagram of a receiver of the fifth embodiment 

Fig.64 is a block diagram of a video signal transmitter of the fifth embodiment 

Fig.65 ts a block diagram of a TV receiver of the fifth embodiment 

Fig.66 is a block diagram of another TV receiver of the fifth embodiment 

Fig.67 is a block diagram of a satellile-to-ground TV receiver of the fifth embodiment 
35 Fig. 68 is a diagram showing an assignment of signal points of an 8 ASK signal of the fifth embodiment 

Fig,69 is a block diagram of a video encoder of the fifth embodiment; 

Fig.70 is a block diagram of a video encoder of the fifth embodiment containing one divider circuit 
Fig.71 is a block diagram of a video decoder of the fifth embodiment; 

Fig.72 is a block diagram of a video decoder of the fifth embodiment containing one mixer circuit; 
« Fig.73 is a diagram showing a time assignment of data components of a transmission signal according to 

the fifth embodiment 

Fig.74-a is a block diagram of a video decoder of the fifth embodiment 

Fig.74-b is a diagram showing another time assignment of data components of the transmission signal ac- 
cording to the fifth embodiment 
*5 Fig.75 is a diagram showing a time assignment of data components of a transmission signal according to 

the fifth embodiment 

Fig.76 is a diagram showing a time assignment of data components of a transmission signal according to 
the fifth embodiment 

Fig.77 is a diagram showing a time assignment of data components of a transmission signal according to 
so the fifth embodiment 

Fig.78 is a block diagram of a video decoder of the fifth embodiment 

Fig.79 is a diagram showing a time assignment of data components of a three-level transmission signaJ 
according to the fifth embodiment 

Fig.80 is a block diagram of another video decoder of the fifth embodiment 
55 Fig.81 is a diagram showing a time assignment of data components of a transmission signal according to 

the fifth embodiment 

Fig.82 is a block diagram of a video decoder for 0, signal of the fifth embodiment; . 

Fig.83 is a graphic diagram showing the relation between frequency and time of a frequency modulated 
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signal according to the fifth embodiment: 

Fig 84 is a block diagram of a magnetic record/playback apparatus of the fifth embodiment 
Fig.85 is a graphic diagram showing the relation between C/N and level according to the second embodi- 
ment; . 
5 Fig.86 is a graphic diagram showing the relation between C/N and transmission distance according to the 

second embodiment; 

Fig.87 is a block diagram of a transmitter of the second embodiment; 
rig.BS is a block diagram of a receiver of the second embodiment; 

Fig.B9 is a graphic diagram showing the relation between C/N and error rate according to the second embo- 
io diment 

Fig.90 is a diagram showing signal attenuating regions in the three-level transmission of the fifth embodi- 
ment 

Fig.91 is a diagram showing signal attenuating regions in the four-level transmission of a sixth embodiment; 
Fig.92 is a diagram showing the four-level transmission of the sixth embodiment; 
is Fig.93 is a block diagram of a divider of the sixth embodiment; 
Fig.94 is a block diagram of a mixer of the six embodiment; 
Fig .95 is a diagram showing another four-level transmission of the sixth embodiment; 
Fig.96 is a view of signal propagation of a known digital TV broadcast system; 

Fig.97 is a view of signal propagation of a digital TV broadcast system according to the sixth embodiment; 
20 Fig .98 is a diagram showing a four-level transmission of the sixth embodiment; 
Fig.99 is a vector diagram of a 16 SRQAM signal of the third embodiment; 
Fig.1 00 is a vector diagram of a 32 SRQAM signal of the third embodiment 

Fig.101 is a graphic diagram showing the relation between C/N and error rate according to the third embo- 
diment 

2$ Fig.102 is a graphic-diagram showing the relation between C/N and error rate according to the third embo- 
diment ' 

Fig.103 is a graphic diagram showing the relation between shift distance n and C/N needed for transmission 
according to the third embodiment; 

Fig.1 04 is a graphic diagram showing the relation between shift distance n and C/N needed for transmission 
30 according to the third embodiment; 

Fig.105 is a graphic diagram showing the relation between signal level and distance from a transmitter 
antenna in terrestrial broadcast service according to the third embodiment; 
Fig.1 06 is a diagram showing a service area of the 32 SRQAM signal of the third embodiment and 
Fig. 107 is a diagram showing a service area of the 32 SRQAM signal of the third embodiment 

35 

PREFERRED EMBODIMENTS OF THE INVENTION 



Embodiment 1 



One embodiment of the present invention will be described referring to the relevant drawings. 

Fig.1 shows the entire arrangement of a signal transmission system according to.the present invention. A 
transmitter 1 comprises an input unit 2. a divider circuit 3. a modulator 4. and a transmitter unit 5. In action, 
each input multiplex signal is divided by the drvider circuit 3 into three groups, a first data stream D t( a second 
data stream D a . and a third data stream D 3 . which are then modulated by the modulator 4 before transmitted 
from the transmitter unit 5. The modulated signal is sent up from an antenna 6 through an uplink 7 to a satellite 
10 where it is intercepted by an uplink antenna 1 1 and amplified by a transponder 12 before transmitted from 
a downlink antenna 13 towards the ground. 

The transmission signal is then sent down through three downlinks 21. 3Z and 41 to a first 23, a second 
33. and a third receiver 43 respectively. In the first receiver 23. the signal intercepted by an antenna 1 22 * fed 
through an input unit 24 to a demodulator 25 where its first data stream only is demodulated, whle the second 
and third data streams are not recovered, before transmitted further from an output unit 26. 

Similarly, the second receiver 33 allows the first and second data streams of the sgnal mtercepted by an 
antenna 32 and fed from an input unit 34 to be demodulated by a demodulator 35 and then, summed by a sum- 
mer 37 to a single data stream which is then transmitted further from an output unit 36. 

The third receiver 43 aJlows all the first, second, and third data steams of the s.gnal intercepted by an anten- 
na 42 and fed from an input unit 44 to be demodulated by a demodulator 45 and then, summed by a summer 
47 to a single data stream which is then transmitted further from an output unit 46 ' 

As understood, the three discrete reefers 23. 33. and 43 have their respective demodulators of drfferent 
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characteristics such that their outputs demodulated from the same frequency band signal of the transmitter 1 
contain data of different sizes. More particularly, three different but compatible data can simultaneously be car- 
ried on a given frequency band signal to their respective receivers. For example, each of three, existing NTSC. 
HDTV, and super HDTV, digital signals is divided into a low, a high, and a super high frequency band compc- 
5 nents which.represent the first the second, and the third data stream respectively. Accordingly, the three dif- 
ferent TV signals can be transmitted on a one-channe! frequency band carrier for simultaneous reproduction 
of a medium, a high, and a super high resolution TV image respectively. 

In service, the NTSC TV signal is intercepted by a receiver accompanied with a small antenna for demod- 
ulation of small-sized data, the HDTV signal is intercepted by a receiver accompanied with a medium antenna 
to for demodulation of medium-sized data, and the super HDTV signal is intercepted by a receiver accompanied 
with a large antenna for demodulation of large-sized data. Also, as illustrated in Fig.1, a digital NTSC TV signal 
containing only the first data stream for digital NTSC TV broadcasting service is fed to a digital transmitter 51 
where it is received by an input unit 52 and modulated by a demodulator 54 before transmitted further from a 
transmitter unit 55. The demodulated signal is then sent up from an antenna 56 through an uplink 57 to the 
15 satellite 10 which in turn transmits the same through a downlink 58 to the first receiver 23 on the ground. 

The first receiver 23 demodulates with its demodulator 24 the modulated digital signal supplied from the 
digital transmitter 51 to the original first data stream signal. Similarly, the same modulated digital signal can be 
intercepted and demodulated by the second 33 or third receiver 43 to the first data stream or NTSC TV signal. 
In summary, the three discrete receivers 23. 33, and 43 all can intercept and process a digital signal of the 
20 existing TV system for reproduction. 

The arrangement of the signal transmission system will be described in more detail. 
Fig .2 is a block diagram of the transmitter 1 , in which an input signal is fed across the in put unit 2 and divided 
by the divider circuit 3 into three digital signals containing a first, a second, and a third data stream respectively. 
Assuming that the input signal is a video signal, its low frequency band component is assigned to the first 
25 data stream; its high frequency band component to the second data stream, and its super-high frequency band 
component to the third data stream. The three different frequency band signals are fed to a modulator input 61 
of the modulator 4. Here, a signal point modulating/changing circuit 67 modulates or changes the positions of 
the signal points according-to an externally given signal. The modulator 4 is arranged for amplitude modulation 
on two 90°-out-of-phase carriers respectively which are then summed to a multiple QAM signal. More specifi- 
30 cally, the signal from the modulator input 61 is fed to both a first 62 and a second AM modulator 63. Also, a 
carrier wave of cos(2irfct) produced by a carrier generator 64 is directly fed to the first AM modulator 62 and 
also, to a n/2 phase shifter 66 where it is 90* shifted in phase to a sin(2fffct) form prior to transmitted to the 
second AM modulator 63. The two amplitude modulated signals from the first and second AM modulators 62,63 
are summed by a summer 65 to a transmission signal which is then transferred to the transmitter unit 5 for out- 
is put This procedure is well known and will no further be explained. 

The QAM signal will now be described in a common 8x8 or 16 state constellation referring to the first quad- 
rant of a space diagram in Fig. 3. The output signal of the modulator 4 is expressed by a sum vector of two, 
Acos2rfct and Bcos2rfct, vectors 81,82 which represent the two 90°-out-of-phase carriers respectively. When 
the disial point of a sum vector from the zero point represents a signal point, the 16 QAM signal has 16 signal 
-to points determined by a combination of four horizontal amplitude values a^a^a^a* and four vertical amplitude 
values b^ba.ba.b,. The first quadrant in Fig.3 contains four signal points 83 at C n , 84 at C 12l 85 at C^, and 86 

atC,,. • 

C,, is a sum vector of a vector 0-a, and a vector 0-b, and thus, expressed as C n = a t ccs2nfct-biSin2sfct 

= Acos (2sfct+dn/2). 

45 It is now assumed that the distance between 0 and a, in the orthogonal coordinates of Fig.3 is A, P between 

a, and a 2 is A 2 . between 0 and b, is B, and between b, to b 2 is B 2 . 

As shown in Fig.4. the 16 signal points are allocated in a vector coordinate, in which each point represents 
a four-bit pattern thus to allow the transmission of four bit data per period or time slot 
Fig.5 illustrates a common assignment of two-bit patterns to the 16 signal points. 

50 When the distance between two adjacent signal points is great, it will be identified by the receiver with much 

ease. Hence, it is desired to space the signal points at greater intervals. tf two particular signaJ points a/e al- 
located near to each other, they are rarely distinguished and error rate will be increased. Therefore, it is most 
preferred to have the signal points spaced at equal intervals as shown in Fig.5, in which the 16 QAM signaJ is 
defined by 

55 The transmitter 1 of the embodiment is arranged to divide an input digital signal into a first, a second, and 

a third data or bit stream. The 16 signal points or groups of signal points are divided into four groups. Then, 4 
two-bit patterns of the first data stream are assigned to the four signal point groups respectively, as shown in 
Fig,6. More particularly, when the two-bit pattern of the first data stream is 1 1 . one of four signal points of the 
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first signal point group 91 in the first quadrant is selected depending on the content of the second data stream 
for transmission. Similarly, when 01 , one signal point of the second signal point group 92 in the second quadrant 
is selected and transmitted. When 00. one signal point of the third signal point group 93 in the third quadrant 
is transmitted and when 10, one signal point of the fourth signal point group 94 in the fourth quadrant is trans- 

5 mitted. Also. 4 two-bit patterns in the second data stream of the 16 QAM signal, or e.g. 16 four-bit patterns in 
the second data stream of a 64-state QAM signal, are assigned to four signal points or sub signal point groups 
of each of the four signal point groups 91,92.93,94 respectively, as shown in Fig.7. It should be understood 
that the assignment is symmetrical between any two quadrants. The assignment of the signal points to the four 
groups 91,92,92,94 is determined by priority to the two-bit data of the first data stream. As the result, two-bit 

10 data of the first data stream and two-bit data of the second data stream can be transmitted independently. Also, 
the first data stream will be demodulated with the use of a common 4 PSK receiver having a given antenna 
sensitivity. If the antenna sensitivity is higher, a modified type of the 16 QAM receiver of the present invention . 
will intercept and demodulate both the first and second data streams with equal success. 

Fig .8 shows an example of the assignment of the first and second data streams in two-bit patterns. 

is When the low frequency band component of an HDTV video signal is assigned to the first data stream and 
the high frequency component to the second data stream, the 4 PSK receiver can produce an NTSC-level pic- 
ture from the first data stream and the 16- or 64-state QAM receiver can produce an HDTV picture from a com- 
posite reproduction signal of the first and second data streams. 

Since the signal points are allocated at equal intervals, there is developed in the 4 PSK receiver a threshold 

20 distance between the coordinate axes and the shaded area of the first quadrant, as shown in Fig.9. If the 
threshold distance is A TO , a 4 PSK signal having an amplitude of A TO will successfully be intercepted. However, 
the amplitude has to be increased to a three times greater value or 3A TO for transmission of a 16 QAM signal 
while the threshold distance A T0 being maintained. More particularly, the energy for transmitting the 16 QAM 
signal is needed nine times greater than that for sending the 4 PSK signal. Also, when the 4 PSK signal is trans- 

25 mitted in a 16 QAM mode, energy waste will be high and reproduction of a carrier signal will be troublesome. 
Above all, the energy available for satellite transmitting is not abundant but strictly limited to minimum use. Hen- 
ce, no large-energy-consuming signal transmitting system will be put into practice until more energy for satellite 
transmission is available. It is expected that a great number of the 4 PSK receivers are introduced into the mar- 
ket as digital TV broadcasting is soon in service. After introduction to the market, the 4 PSK receivers will hardly 

30 be shifted to higher sensitivity models because a signal intercepting characteristic gap between the two, old 
and new. models is high. Therefore, the transmission of the 4 PSK signals must not be abandoned. In this re- 
spect, a new system is desperately needed for transmitting the signal point data of a quasi 4 PSK signal in the • 
16 QAM mode with the use of less energy. Otherwise, the limited energy at a satellite station will degrade the 
entire transmission system. 

as The present invention resides in a multiple signal level arrangement in which the four signal point groups 
91,92,93,94 are allocated at a greater distance from each other, as shown in Fig.10, for minimizing the energy 
consumption required for 16 QAM modulation of quasi 4 PSK signals. 

For dearing the relation between the signal receiving sensitivity and the transmitting energy, the arrange- 
ment of the digital transmitter 51 and the first receiver 23 will be described in more detail referring to Fig.1. 

io Both the digital transmitter 51 and the first receiver 23 are formed of known types for data transmission or 
video signal transmission e.g. in TV broadcasting service. As shown in Fig.17, the digital transmitter 51 is a 4 
PSK transmitter equivalent to the multiple-bit QAM transmitter 1 , shown in Fig.2, without AM modulation capabi- 
lity. In operation, an input signal is fed through an input unit 52 to a modulator 54 where it is divided by a mod- 
ulator input 121 to two components. The two components are then transferred to a first two-phase modulator 

is circuit 122 for phase modulation of a base carrier and a second two-phase modulator circuit 123 for phase , 
modulation of a earner which is 90° out of phase with the base carrier respectively. Two outputs of the first and 
second two-phase modulator circuits 122,123 are then summed by a summer 65 to a composite modulated 
signal which is further transferred from a transmitter unit 55. 

The resultant modulated signal is shown in the space diagram of Fig.18. 

so It is known that the four signal points are allocated at equal distances for achieving optimum energy utili- 

zation. Fig.18 illustrates an example where the foursignal points 125,126,127,128 represent 4 two-bit patterns, 
11, 01, 00. and 10 respectively. It is also desired for successful data transfer from the digital transmitter 51 to 
the first receiver 23 that the 4 PSK signal from the digital transmitter 51 has an amplitude of not less than a 
given level. More specifically, when the minimum amplitude oftfie 4 PSK signal needed for transmission from 

ss the digital transmitter 51 to the first receiver 23 of 4 PSK mode, or the distance between 0 and a, in Fig.18 *e 
A T0 . the first receiver 23 can successfully intercept any 4 PSK signal having an amplitude of more than A T0 . 

The first receiver 23 is arranged to receive at its small-diameter antenna 22 a desired or 4 PSK signal which 
is transmitted from the transmitter 1 or digital transmitter 51 respectively through the transponder 12 of the sate^ 
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lite 10 and demodulate It with the demodulator 24. In more particular, the first receiver 23 is substantially de- 
signed for interception of a digital TV or data communications signal of 4 PSK or 2 PSK mode. 

Fig.19 is a block diagram of the first receiver 23 in which an input signal received by the antenna 22 from 
the satellite 12 is fed through the input unit 24 to a carrier reproduting circuit 131 where a carrier wave is de- 
modulated and toa^ phase shifter 132 where a 90* phase shifted carrier wave is demodulated. Also, two 
90'-out-of-phase components of the input signal are detected by a first 1 33 and a second phase detector circuit 
134 respectively and transferred to a first 136 and a second discrimination/ demodulation circuit 137 respect- 
(vely. Two demodulated components from their respective discrimination/demodulation circuits 136 and 137, 
which have separately been discriminated at units of time slot by means of timing signals from a timing wave 
extracting circuit 135, are fed to a first data stream reproducing unit 232 where they are summed to a first data 
stream signal which is then delivered as an output from the output unit 26. 

The input signal to the first receiver 23 will now be explained in more detail referring to the vector diagram 
of Fig.20. The 4 PSK signal received by the first receiver 23 from the digital transmitter 51 is expressed in an 
ideal form without transmission distortion and noise, using four signal points 151.152.153,154 shown in Fig.20. 

In practice, the real four signal points appear in particular extended areas about the ideal signal positions 
151.152.153,154 respectively due to noise, amplitude distortion, and phase error developed during transmis- 
sion. If one signal point is unfavorably displaced from its original position, it will hardly be distinguished from 
its neighbor signaJ point and the error rate will thus be increased. As the error rate increases to a critical level, 
the reproduction of data becomes less accurate. For enabling the data reproduction at a maximum acceptable 
level of the error rate, the distance between any two signal points should be far enough to be distinguished 
from each other. If the distance is 2Afto, the signal point 151 of a 4 PSK signal at close to a critical error level 
has to stay in a first discriminating area 155 denoted by the hatching of Fig.20 and determined by 1 0-a R , | £A« 0 
and 1 0-b R1 1 £A« 0 . This allows the signal transmission system to reproduce carrier waves and thus, demodulate 
a wanted signal. When the minimum radius of the antenna 22 is set to r 0 . the transmission signal of more than' 
a given level can be intercepted by any receiver of the system. The amplitude of a 4 PSK signal of the digital 
transmitter 51 shown in Fig.18 is minimum at A T0 and thus, the minimum amplitude A«o of a 4 PSK signal to 
be received by the fret receiver 23 is determined equal to A T0 . As the result, the first receiver 23 can intercept 
and demodulate the 4 PSK signal from the digital transmitter 51 at the maximum acceptable level of the error 
rate when the radius of the antenna 22 is more than r^ If the transmission signal is of modified 16- or 64-state 
QAM mode, the first receiver 23 may find difficult to reproduce its carrier wave. For compensation, the signal 
po.nts are increased to eight which are allocated at angles of («/4 +n */2) as shown in Fig.25-a and its carrier 
wave will be reproduced by a 1 6x multiplication technique. Also, if the signal points are assigned to 1 6 locations 
at angles of n*/8 as shown in Fig.25-b. the carrier of a quasi 4 PSK mode 16 QfiM modulated signal can be 
reproduced with the carrier reproducing circuit 131 which is modified for performing 16x frequency multipli- 
cation. Al the time, the signaJ points in the transmitter 1 should be arranged to satisfy MA^A^nfn/S). 

Here, a case of receiving a QPSK signal will be considered. Similarly to the manner performed by the signal 
point modulating/changing circuit 67 in the transmitter shown in Fig.2. it is also possible to modulate the posi- 
tions of the signal points of the QPSK signal shown in Fig.18 (amplitude-modulation, pulse-modulation, or the 
like). In this case, the signal point demodulating unit 1 38 in the first receiver 23 demodulates the position mod- 
ulated or position changed signal. The demodulated signal is outputted together with the first data stream. 

The 16 QAM signal of the transmitter 1 wQI now be explained referring to the vector diagram of Fig.9. When 
the horizontal vector distance A, of the signaJ point 83 is greater than A T0 of the minimum amplitude of the 4 
PSK signal of the digital transmitter 51. the four signal points 83,84,85,86 in the first quadrant of Fig.9 stay in 
the shaded or first 4 PSK signal receivable area 87. When received by the first receiver 23, the four points of 
the signal appear in the first discriminating area of the vector field shown in Fig.20. Hence, any of the signal 
points 83.84,85,86 of Fig.9 can be translated into the signaJ level 151 of Fig.20 by the first receiver 23 so that 
the two-bit pattern of 1 1 is assigned to a corresponding time slot The two-bit pattern of 1 1 is identical to 1 1 of 
the first signal point group 91 or first data stream of a signal from the transmitter 1. Equally, the first data stream 
will be reproduced at the second, third, or fourth quadrant As the result, the first receiver 23 reproduces two-bit 
data of the first data stream out of the plurality of data streams in a 16-, 32-. orS4-state QAM signal transmitted 
from the transmitter 1. The second and third data streams are contained in four segments of the signaJ point 
group 91 and thus, will not affect on the demodulation of the first data stream. They may however affect the 
reproduction of a carrier wave and an adjustment, described later, will be needed. 

If the transponder of a satellite supplies an abundance of energy, the foregoing technique oM6 to S4-state 
QAM mode transmission will be feasible. However, the transponder of the satellite in any existing satellite trans- 
mission system is stricrjy limited in the power supply due to its compact size and the capability of solar batteries. 
If the transponder or satellite is increased in size thus weight, its launching cost will soar. This disadvantage 
will rarely be eliminated by traditional techniques unless the cost of launching a satellite rocket is reduced to 
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a considerable level. In the existing system, a common communications satellite provides as low as 20 W of 
power supply and a common broadcast satellite offers 100 W to 200 W at bcsL For transmission of such a 4 
PSK signal in the symmetrical 16-state QAM mode as shown in Fig.9. the minimum signal point distance is 
needed 3A T0 as the 16 QAM amplitude is expressed by 2A,=A 2 . Thus, the energy needed (or the purpose is 
nine times greater than that for transmission of a common 4 PSK signal, in order to maintain compatibility. Also, 
any conventional satellite transponder can hardly provide a power for enabling such a small antenna of the 4 
PSK nj-st receiver to intercept a transmitted signal therefrom. For example, in the existing 40W system, 360 W 
is needed for appropriate signal transmission and will be unrealistic in the respect of cost. 

It would be understood that the symmetrical signal state QAM technique is most effective when the receiv- 
ers equipped with the same sized antennas are employed corresponding to a given transmitting power. Another 
novel technique will however be preferred for use with the receivers equipped with different sized antennas. 

In more detail, while the 4 PSK signal can be intercepted by a common low cost receiver system having a 
small antenna, the 1 6 QAM signal is intended to be received by a high cost, high quality, multiple-bit modulating 
receiver system with a medium or large sized antenna which is designed for providing highly valuable services, 
e.g. HDTV entertainments, to a particular person who invests more money. This allows both 4 PSK and 1 6 QAM 
signals, if desired, with a 64 DMA, to be transmitted simultaneously with the help of a small increase in the 
transmitting power. 

For example, the transmitting power can be maintained low when the signal points are allocated at A,=A 2 
as shown in Fig.10. The amplitude A(4) for transmission of 4 PSK data is expressed by a vector 96 equivalent 
to a square root of 2A t *. The amplitude A(16) of the entire signal is expressed by a vector 96 equivalent to a 
square root of {A^A^^B^+B^ 2 , Then. 

|A(4)|> = A,*+B,* = A T0 2 + A T0 ? = 2A T0 2 
|A(16)|2 = (A, + A a P + (B, + B 2 P = 4A T o 3 + 4A T0 2 = 28A to 2 
|A(16)|/|A(4)| = 2 

Accordingly, the 1 6 QAM signal can be transmitted at a two times greater amplitude and a four times greater 
transmitting energy than those needed for the 4 PSK signal. A modified 1 6 QAM signal according to the present 
invention will not be demodulated by a common receiver designed for symmetrical, equally distanced signal 
point QAM. However, it can be demodulated with the second receiver 33 when two thresholds A, and A 2 are 
predetermined to appropriate values. At Fig.10. the minimum distance between two signal points in the first 
segment of the signal point group 91 is A, and Aj/2A, is established as compared with the distance 2A, of 4 
PSK. Then, as A^Aj. the distance becomes 1/2. This explains that the signal receiving sensitivity has to be 
two times greater for the same error rate and four times greater for the same signal level. For having a four 
times greater value of sensitivity, the radius r 2 of the antenna 32 of the second receiver 33 has to be two times 
greater than the radius r, of the antenna 22 of the first receiver 23 thus satisfying r 2 =2r 1 . For example, the anten- 
na 32 of the second receiver 33 is 60 cm in diameter when the antenna 22 of the first receiver 23 is 30 cm. In 
this manner, the second data stream representing the high frequency component of an HDTV signal will be 
carried on a single channel and demodulated successfully. As the second receiver 33 intercepts the second 
data stream or a higher data signal, its owner can enjoy a return of his higher investment Hence, the second 
receiver 33 of a higher price may be accepted. As the minimum energy for transmission of 4 PSK data is pre- 
determined, the ratio n„ of modified 1 6 APSK transmitting energy to 4 PSK transmitting energy wilt be calcu- 
lated to the antenna radius r 2 of the second receiver 33 using a ratio between A, and A 2 shown in Fig.10. 

In particular. n„ is expressed by ((A.+A^/A,) 2 which is the minimum energy for transmission of 4 PSK data. 
As the signal point distance suited for modified 16 QAM interception is A 2l the signal point distance for 4 PSK 
interception is 2A,. and the signal point distance ratio is Aa/2A,. the antenna radius r 2 is determined as shown 
in Fig .1 1 , in which the curve 1 01 represents the relation between the transmitting energy ratio n,« and the radius 
r 2 of the antenna 22 of the second receiver 23. 

Also the point 102 indicates transmission of common 16 QAM at the equal distance SI gnal state mode 
where the transmitting energy is nine times greater and thus will no more be practical. As apparent from the 
graph of Fig.11. the antenna radius r 2 of the second receiver 23 cannot be reduced further even if n„ s in- 
creased more than 5 times. 

The transmitting energy at the satellite is limited to a small value and thus, n 1( preferably stays not more 
than 5 times the value, as denoted by the hatching of Fig.1 1. The point 104 within the hatching area 103 inoV 
cates for example, that the antenna radius r 2 of a two times greater value is matched with a 4x value of the 
transmitting energy. Also, the point 105 represents that the transmission energy should be doubled when r 2 is 
about 5x greater. Those values are ail within a feasible range. 

The value of n, e not greater than 5x value is expressed using A, and A 2 as: 

n„ = ((A, + AjJ/A,) 2 £ 5 

Hence. A 2 S 1.23A,. 

1C 
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If the distance between any two signal point group segments shown in Fig.10 is 2A(4) and the maximum 
amplitude is 2A(16), A(4) and A(16)-A(4) are proportional to A, and A 2 respectively. Hence, (A(16)) J £5(A(14)) 2 
is established. 

The action of a modified 84 ASPK transmission will be described as the third receiver 43 can perform 64- 
5 state QAM demodulation. 

Fig. 12 is a vector diagram in which each signal point group segment contains 16 signal points as compared 
with 4 signal points of Fig.10. The first signal point group segment 91 in Fig.12 has a 4x4 matrix of 16 signal 
points allocated at equal intervals including the point 170. For providing compatibility with 4 PSK, A,2A T0 has 
to be satisfied. If the radius of the antenna 42 of the third receiver 43 is r 3 and the transmitting energy is n w , 
10 the equation is expressed as: 

r 3 i a {6i/(n-1)}r,' 

This relation between r, and n of a 64 QAM signal is also shown in the graphic representation of Fig.13. 

It is understood that the signal point assignment shown in Fig.12 allows the second receiver 33 to demod- 
ulate only two-bit patterns of 4 PSK data. Hence, it is desired for having compatibility between the first, second, 
15 and third receivers that the second receiver 33 is arranged capable of demodulating a modified 16 QAM form 
from the 64 QAM modulated signal. 

The compatibility between the three discrete receivers can be implemented by three-level grouping of sig- 
nal points, as illustrated in Fig. 14. The description will be made referring to the first quadrant in which the first 
signal point group segment 91 represents the two-bit pattern 11 of the first data stream. 
20 In particular, a first sub segment 181 in the first signal point group segment 91 is assigned the two-bit pattern 

1 1 of the second data stream. Equally, a second 182, a third 183. and a fourth sub segment 184 are assigned 
01, 00, and 10 of the same respectively. This assignment is identical to that shown in Fig.7. 

The signal point allocation of the third data stream will now be explained referring to the vector diagram of 
Fig.15 which shows the first quadrant As shown, the four signal points 201,205.209.213 represent the two-bit 
25 pattern of 1 1. the signal points 202.206.210.214 represent 01. the signal points 203.207.211,215 represent 00. 
and the signal points 204,208.212,216 represent 10. Accordingly, the two-bit patterns of the third data stream 
can be transmitted separately of the first and second data streams. In other words, two-bit data of the three 
different signal levels can be transmitted respectively. 

As understood, the present invention permits not only transmission of six-bit data but also interception of 
30 three, two-bit four-bit. and six-bit, different bit length data with their respective receivers while the signal com- 
patibility remains between three levels. 

The signal point allocation for providing compatibility between the three levels will be described. 
As shown in Fig.15, A,£A ro is essential for allowing the first receiver 23 to receive the first data stream. 
It is needed to space any two signal points from each other by such a distance that the sub segment signaJ 
05 points, e.g. 182.183.184, of the second data stream shown in Fig.15 can be distinguished from the signal point 
91 shown in Fig.10. 

Fig.15 shows that they are spaced by 2/3A 2 . In this case, the distance between the two signal points 201 
and 202 in the first sub segment 181 is Aj/6. The transmitting energy needed for signal interception with the 
third receiver 43 is now calculated. If the radius of the antenna 32 is r 3 and the needed transmitting energy is 
40 n w times the 4 PSK transmitting energy, the equation is expressed as: 

r 3 ' = (12r,)2/(n-1) 

This relation is also denoted by the curve 211 in Fig. 16. For example, if the transmitting energy is 6 or 9 times 
greater than that for 4 PSK transmission at the point 223 or 222, the antenna 32 having a radius of 8x or 6x 
value respectively can intercept the first, second, and third data streams for demodulation. As the signal point 
45 distance of the second data stream is dose to 2/3A 3 , the relation between r x and r 2 ts expressed by. 

r 2 J = (3r,) 2 /(n-1) 

Therefore, the antenna 32 of the second receiver 33 has to be a bit increased in radius as denoted by the curve 
223. 

As understood, while the first and second data streams are transmitted through a traditional satellite which 
50 provides a small signaJ transmitting energy, the third data stream can also be transmitted through a future satel- 
lite which provides a greater signal transmitting energy without interrupting the action of the first and second 
receivers 23,33 or with no need of modification of the same and thus, both the compatibility and the advance- 
ment will highly be ensured. 

The signal receiving action of the second receiver 33 will first be described. As compared with the first re- 
55 ceiver 23 arranged for interception with a smaller radius r t antenna and demodulation of the 4 PSK modulated 
signal of the digital transmitter 51 or the first data stream of the signal of the transmitter 1, the second receiver 
33 is adapted for perfectly demodulating the 16 signal state two-bit data, shown in Fig.10, or second data stream 
of the 16 QAM signal from the transmitter 1. In total, four-bit data including also the first data stream can be 
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demodulated. The ratio between A, and A, is however different in the two transmitters. The two different data 
'reloaded to a demodulation controller 231 of the second receiver 33. shown in Fig.21 . which ,n turn suppl.es 
their respective threshold values to the demodulating circuit for AM demodulation. 

The block diagram of the second receiver 33 in Fig.21 is similar in basic constructs to that of the first 
receiver 23 shown in Fig.19. The difference is that the radius r, of the antenna 32 is greater than r, of the antenna 
22 This allows the second receiver 33 to identify a signal component involving a smaller signal point d.stance. 
The demodulator 35 of the second receiver 33 also contains a first 232 and a second data stream reproducing 
unit 233 in addition to the demodulation controller 231 . There is provided a first discrimination/reproducbon or- . 
cuit 1 36 for AM demodulation of modified 1 6 QAM signals. As understood, each carrier is a four-bit signa having . 
two positive and negative, threshold values about the zero level. As apparentfrom the vector diagram of FigiZ. 
the threshold values are varied depending on the transmitting energy of a transmitter since the transmitting sig- 
nal of the embodiment is a modified 16 QAM signal. When the reference threshold isTH,,. it is determined by. 
as shown in Fig.22: 

TH„= (A, + A^2)/(A 1 + Ai) 
The various data for demodulation including A1 and A 2 orTH,,. and the value mfor multiple-bit modulation 
are also transmitted from the transmitter 1 as carried in the first data stream. The demodulation controller 231 
may be arranged for recovering such demodulation data through statistic process of the reserved signal. 

A way of determining the shift factor A./A, will be described with reference to Fig.26. A change of the shift 
factor A./A, causes a change of the threshold value. Increase of a difference of a value of A./A, "1 at the re- 
ceiver side from a value of A,/A, set at the transmitter side will increase the error rate. Referring to Fig 26. the 
demodulated signal from the second data stream reproducing unit 233 may be fed back to the demodulation 
controller 231 to change the shift factor A./A, in a direction to decrease the error rate. By th.s arrangement, 
the third recerver 43 may not demodulate the shift factor A./A,, so that the circuit construction can be simplified. 
Further, the transmitter may not transmit the shift factor A,/A„ so that the transmission capacity can be in- 
creased. This technique can be applied also to the second receiver 33. 

The demodulation controller 231 has a memory 231a for storing therein drfferent threshold values (i.e.. the . 
shift factors, the number of signal points, the synchronization rules, etc.) which correspond to drfferent channels . 
of TV broadcast. When receiving one of the channels again, the values corresponding to the recerving channel 
will be read out of the memory to thereby stabilize the reception quickly. "-. 

If the demodulation data is lost, the demodulation of the second data stream will hardly be executed. This 
will be explained referring to a flow chart shown in Fig.24. m.^t^h^, 

Even if the demodulation data is not available, demodulation of the 4 PSK at Step 313 and of the first da* 
stream at Step 301 can be implemented. At Step 302. the demodulation data retrieved by the first data stream 
reproducing unit 232 is fransferred to the demodulation controller 231. If m to 4 or 2 at Step 303. the demodu- 
lation controller 231 triggers demodulation of 4 PSK or 2 PSK at Step 313. If noU the Procedure moves to Sfcp 
310 At Step 305. two threshold values TH, and TH„ are calculated. The threshold value TH,. for AM demod- 
ulation is fed at Step 306 from the demodulation controller 231 to both the first 136 and the second discnmn . 
nation/reproduction circuit 137. Hence, demodulation of the modified 16 QAM signal and reproduction of the 
«cTd dafc stream can be carried out a. Steps 307 and 315 respectively. A. Step 308. the error rate . 
examined and if high, the procedure returns to Step 31 3 for repeating tie 4 PSK demodulation 

As shown in Fk).2Z the signal points 85,63 are aligned on a line at an angle of cos ^"' + [" ! ^^'^' 
86 are off the.ine. Hence, the feedback of a second data ^""^^^^SS'^^ 
data stream reproducing unit 233 to a carrier reproducing circuit 131 • earned out so that no earner needs to 
be extracted at the timing of the signal points 84 and 86. 

The transmitter 1 to arranged . 
stream to tne purpose of compensate for no demodulation of the second data stream .The «mer Um.ng sig- 
nal eS to identify the signal points 83 and 85 of the first data stream regardless of demodulabon of the 
seLnd dattJelm Hence. L reproduction of earner wave can be triggered by the transmitting earner data 

10 ^ STn SST-SS of ft. «ow chart of F** whether m * 16 or not upon receip. £ such a 
moled 64 C^M signal as shown in Fig.23. At Step 310. K to also examined whether m is 
T« I is determined al Step 311 that the received signal has no equal distance signal po.n constellauor^the 
pn^dure gc^o Step 312 The signal point distance TH„ of the modified 64 QAM SKjnal is coated from. 

TH« = (A ( + Aj/2V(A| + Aj) 
This calculation is equivalent to that of TH,. but its resultant distance between signal poind 

„ the signal point distance in the firs, sub segment 181 is A, the d.tance b °*" n * e ™™^ 
second sub segment 182 is expressed by (A r 2A.)- Then, the average distance of 
donated as d w . When d w is smaller than T, which represents the s.gnal point domination capabtty 
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the second receiver 33. any two signal points in the segment will hardly be distinguished from each other. This 
judgment is executed at Step 313. If d w is out of a permissive range, the procedure moves back to Step 313 
for 4 PSK mode demodulation. If d w is within the range, the procedure advances to Step 305 for allowing the 
demodulation of 1 6 QAM at Step 307. If it is determined at Step 308 that the error rate is too high, the procedure 
5 goes back to Step 31 3 for 4 PSK mode demodulation. 

When the transmitter 1 supplies a modified 8 QAM signal such as shown in Fig.25-a in which all the signal 
points are at angles of cos(2Ttf+n-n/4), the carrier waves of the signal are lengthened to the same phase and 
will thus be reproduced with much ease. At the time, two-bit data of the first data stream are demodulated with 
the 4-PSk receiver while one-bit data of the second data stream is demodulated with the second receiver 33 
jo and the total of three -bit data can be reproduced. 

The third receiver 43 will be described in more detail. FigJ26 shows a block diagram of the third receiver 
43 similar to that of the second receiver 33 in Fig.21. The difference is that a third data stream reproducing unit 
234 is added and also, the discrimination/reproduction circuit has a capability of identifying eight-bit data. The 
antenna 42 of the third receiver 43 has a radius r 3 greater than r 2 thus allowing smaller distance state signals, 
is e.g. 32- or 64-state QAM signals, to be demodulated. For demodulation of the 64 QAM signal, the first discrimi- 
nation/reproduction circuit 136 has to identify 8 digit levels of the detected signal in which seven different 
threshold levels are involved. As one of the threshold values is zero, three are contained in the first quadranL 

Fig.27 shows a space diagram of the signal in which the first quadrant contains three different threshold 
values. 

20 As shown in Fig.27. when the three normalized threshold values are TH1 W . TH2 W , and TH3 W , they are 

expressed by: 

TH1 W = (A t + Aj/2)/(A, + AJ 
TH2* = (A, + AjttJ/tA, ♦ Aj) and 
TH3 W - (A, + A 2 -Aj/2)/(A, + A 2 ). 

25 Through AM demodulation of a phase detected signal using the three threshold values, the third data 
stream can be reproduced like the first and second data streams explained with Fig.21. The third data stream 
contains e.g. four signal points 201.202,203.204 at the first sub segment 181 shown in Fig.23 which represent 
4 values of two-bit pattern. Hence, six digits or modified 64 QAM signals can be demodulated. 

The demodulation controller 231 detects the values m. A,. A 2 , and A 3 from the demodulation data contained 

30 in the first data stream demodulated at the first data stream reproducing unit 232 and calculates the three 
threshold values TH1 U , TH^. and TH3 W which are then fed to the first 136 and the second discrimination/re- 
production circuit 137 so that the modified 64 QAM signal is demodulated with certainty. Also, rf the demodu- 
lation data have been scrambled, the modified 64 QAM signal can be demodulated only with a specific or 
subscriber receiver. Fig .28 is a flow chart showing the action of the demodulation controller 231 for modified 

35 64 QAM signals. The difference from the flow chart for demodulation of 16 QAM shown in Fig.24 will be exp- 
lained. The procedure moves from Step 304 to Step 320 where it is examined whether m=32 or noL If m=32, 
demodulation of 32 QAM signals is executed at Step 322. if not. the procedure moves to Step 321 where it is 
examined whether m=64 or not. If yes. A 3 is examined at Step 323. If A 3 is smaller than a predetermined value, 
the procedure moves to Step 305 and the same sequence as of Fig.24 is implemented. If it is judged at Step 

-o 323 that Aj is not smaller than the predetermined value, the procedure goes to Step 324 where the threshold 
values are calculated. At Step 325. the calculated threshold values are led to the first and second discrim'h 
nation/reproduction circuits and at Step 326, the demodulation of the modified 64 QAM signal is carried ouL 
Then, the first, second, and third data streams are reproduced at Step 327. At Step 328, the error rate is 
examined. If the error rate is high, the procedure moves to Step 305 where the 16 QAM demodulation is re- 

■cs peated and if low, the demodulation of the 64 QAM is continued. 

The action of carrier wave reproduction needed for execution of a satisfactory demodulating procedure will 
now be described. The scope of the present invention includes reproduction of the first data stream of a modified 
1 6 or 64 QAM signal with the use of a 4 PSK receiver. However, a common 4 PSK receiver rarely reconstructs 
carrier waves, thus failing to perform a correct demodulation. For compensation, some arrangements are 

so necessary at both the transmitter and receiver sides. 

Two techniques for the compensation are provided according to the present invention. A first technique 
relates to transmission of signaJ points aligned at angles of (2n-1)*/4 at intervals of a given time, A second tech- 
nique offers transmission of signal points arranged at intervals of an angle of nn/8. 

According to the first technique, the eight signal points including 83 and 85 are aligned at angles of rJ4, 

SJ 3rJ4, 5VJ4, and 7it/4, as shown in Fig.38. In action, at least one of the eight signal points is transmitted during 
sync time slot periods 452,453,454,455 arranged at equal intervals of a time in a time slot gap 451 shown in 
the time chart of Fig.38. Any desired signal points are transmitted during the- other time slots. The transmitter 
1 is also arranged to assign a data for the time slot interval to the sync timing data region 499 of a sync data 
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block, as shown in Fig.41 . 

The content of a transmitting signal will be explained in more detail referring to Fig.41. The time slot group 
451 containing the sync time slots 452,453.454,455 represents a unit data stream or block 491 carrying a data 

ofDn. . 

The sync time slots in the signal are arranged at equal intervals of a given time determined by the time 
slot interval or sync timing data. Hence, when the arrangement of the sync time slots is detected, reproduction 
of carrier waves will be executed slot by slot through extracting the sync timing data from their respective time 

slots. " 

Such a sync timing data S is contained in a sync block 493 accompanied at the front end of a data frame 
492. which is consisted of a number of the sync time slots denoted by the hatching in Fig.41. Accordingly, the 
data to be extracted for carrier wave reproduction are increased, thus allowing the 4 PSK receiver to reproduce 
desired carrier waves at higher accuracy and efficiency. " - 

The sync block 493 comprises sync data regions 496,497 ,498,...containing sync data S1.S2.S3,... respect- 
ively which include unique words and demodulation data. The phase sync signal assignment region 499 is ac- 
companied at the end of the sync block 493, which holds a data of ) T including information about interval 
arrangement and assignment of the sync time slots. 

The signal point data in the phase sync time slot has a particular phase and can thus be reproduced by 
the 4 PSK receiver. Accordingly. I T in the phase sync signal assignment region 499 can be retrieved without 
error thus ensuring the reproduction of carrier waves at accuracy. 

As shown in Fig.41, the sync block 493 is followed by a demodulation data block 501 which contains de- 
modulation data about threshold voltages needed for demodulation of the modified multiple-bit QAM signal. 
This data is essential for demodulation of the multiple-bit QAM signal and may preferably be contained in a 
region 502 which is a part of the sync block 493 for ease of retrieval. 

Fig.42 shows the assignment of signal data for transmission of burst form signals through a TDMA method. 

The assignment is distinguished from that of Fig.41 by the fact that a guard period 521 is inserted between 
any two adjacent Dn data blocks 491,491 for interruption of the signal transmission. Also, each data block 491 
is accompanied at front end a sync region 522 thus forming a data block 492. During the sine region 522. the 
signal points at a phase of (2n-1)r/4 are only transmitted. Accordingly, the carrier wave reproduction will be 
feasible with the 4 PSK receiver. More specifically, the sync signal and carrier waves can be reproduced through 
the TDMA method. 

The carrier wave reproduction of the first receiver 23 shown in Fig.19 will be explained in more detail ref- 
erring to Figs.43 and 44. As shown in Fig.43. an input signal is fed through the input unit 24 to a sync detector 
circuit 541 where it is sync detected. A demodulated signal from the sync detector 541 is transferred to an output 
circuit 542 for reprodcution of the first data stream. A data of the phase sync signal assignment data region 
499 (shown in Fig.41) is retreived with an extracting timing controller circuit 543 so that the timing of sync signals 
of (2n-l)n/4 data can be acknowledged and transferred as a phase sync control pulse 561 shown in Fig.44 to 
a carrier reproduction controlling circuit 544. Also, the demodulated signal of the sync detctor circuit 541 is fed 
to a frequency multiplier circuit 545 where it is 4x multiplied prior to transmitted to the carrier reproduction con- 
trolling circuit 544. The resultant signal denoted by 562 in Fig.44 contains a true phase data 563 and otherdata. 
As illustrated in a time chart 564 of Fig.44, the phase sync time slots 452 carrying the (2n-1)*/4 data are also 
contained at equal intervals. At the carrier reproducing controlling circuit 544. the signal 562 is sampled by the 
phase sync control pulse 561 to produce a phase sample signal 565 which is then converted through sample- 
hold action to a phase signal 566.The phase signal 566 of the carrier reproduction controlling circuit 544 is fed 
across a loop filter 546 to a VCO 547 where its relevant carrier wave is reproduced. The reproduced carrier is 
then sent to the sync detector circuit 541. In this manner, the signal point data of the (2n-1}n/4 phase denoted 
by the shaded areas in Fig.39 is recovered and utilized so that a correct carrier wave can be reproduced by 
4x or 16x frequency multiplication. Although a plurality of phases are reproduced at the time, the absolute phase 
of the carrier can successfully be idertfrtied with the use of a unique word assigned to the sync region 496 shown 

F ^transmission of a modified 64 QAM signal such as shown in Fig.40, signal points in the phase sync 
areas 471 at the (2n-1)n/4 phase denoted by the hatching are assinged to the sync time slots 452,452b, etc 
Its carrier can be reproduced hardly with a common 4 PSK receiver but successfully with the first receiver 23 
of 4 PSK mode provided with the carrier reproducing circuit of the embodiment. 

The foregoing carrier reproducing circuit is of COSTAS type. A carrier reproducing circuit of reverse modu- 
lation type will now be explained according to the embodiment 

Fig 45 shows a reverse modulation type carrier reproducing circuit according to the present invention, in 
which a received signal is fed from the input unit 24 to a sync detector circuit 541 for producing a demodulated 
signal. Also, the input signal is delayed by a first delay circuit 591 to a delay signal. Tne delay signal is then 
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transferred to a quadrature phase modulator circuit 592 where it is reverse demodulated by the demodulated 
signal from the sync detector circuit 541 to a carrier signal. The carrier signal is fed through a carrier reproduc- 
tion controller circuit 544 to a phase comparator 593. A carrier wave produced by a VCO 547 is delayed by a 
second delay circuit 594 to a delay signal which is also fed to the phase comparator 593. At the phase com- 
parator 594, the reverse demodualted carrier signal is compared in phase with the delay signal thus producing 
a phase difference signal. The phase difference signal is sent through a loop filter 546 to the VCO 547 which 
in turn produces a carrier wave arranged in phase with the received carrier wave. In the same manner as of 
the COSTAS carrier reproducing circuit shown in Fig.43, an extracting timing controller circuit 543 performs 
sampling of signal points contained in the hatching areas of Fig.39. Accordingly, the carrier wave of a 16 or 64 
QAM signal can be reproduced with the 4 PSK demodulator of the first receiver 23. 

The reproduction of a carrier wave by 16x frequency multiplication will be explained. The transmitter 1 
shown in Fig.1 is arranged to modulate and transmit a modified 16 QAM signal with assignment of its signal 
points at nn/8 phase as shown in Frg.46. At the first receiver 23 shown in Fig.19, the carrier wave can be re- 
produced with its COSTAS carrier reproduction controller circuit containing a 16x multiplier circuit 661 shown 
in Fig.48. The signal points at each n*/8 phase shown in Fig. 46 are processed at the first quadrant by the action 
of the 16x multiplier circuit 661, whereby the carrier will be reproduced by the combination of a loop filter 546 
and a VCO 541. Also, the absolute phase may be determined from 16 different phases by assigning a unique 
word to the sync region. 

The arrangement of the 16x multiplier circuit wOI be explained referring to Fig.48. A sum signal and a dif- 
ference signal are produced from the demodulated signal by an adder circuit 662 and a subtracter circuit 663 
respectively and then, multiplied each other by a multiplier 664 to a cos 28 signal. Also, a multiplier 665 produces 
a sin 26 signal. The two signals are then multiplied by a multiplier 666 to a sin 46 signal. 

Similarly, a sin 89 signal is produced from the two, sin 28 and cos 29, signals by the combination of an 
adder circuit 667, a subtracter circuit 668. and a multiplier 670. Furthermore, a sin 169 signal is produced by # 
the combination of an adder circuit 671, a subtracter circuit 672, and a multiplier 673. Then, the 16x multipli-' 
cation is completed. 

Through the foregoing 16x multiplication, the carrier wave of alt the signal points of the modified 16 QAM 
signal shown in Fig.46 will successfully be reproduced without extracting particular signal points. 

However, reproduction of the carrier wave of the modified 64 QAM signal shown in Fig.47 can involve an 
increase in the error rate due to dislocation of some signal points from the sync areas 471. 

Two techniques are known for compensation for the consequences. One is inhibiting transmission of the 
signal points dislocated from the sync areas. This causes the total amount of transmitted data to be reduced 
but allows the arrangement to be facilitated. The other is providing the sync time slots as described in Fig .38. 
In more particular, the signal points in the rm/8sync phase areas, e.g. 471 and 471a, are transmitted during 
the period of the corresponding sync time slots in the time slot group 451. This triggers an accurate synchroni- 
zing action during the period thus minimizing phase error; 

As now understood, the 16x multiplication allows the simple 4 PSK receiver to reproduce the carrier wave 
of a modified 1 6 or 64 QAM signal. Also, the insertion of the sync time slots causes the phasic accuracy to be 
increased during the reproduction of carrier waves from a modified 64 QAM signal. 

As set forth above, the signal transmission system of the present invention is capable of transmitting a 
plurality of data on a single carrier wave simultaneously in the multiple signal level arrangement. 

More specifically, three different level receivers which have discrete characteristics of signal intercepting 
sensitivity and demodulating capability are provided in relation to one single transmitter so that any one of them 
can be selected depending on a wanted data size to be demodulated which is proportional to the price. When 
the first receiver of low resolution quality and low price is acquired together with a small antenna, its owner can 
intercept and reproduce the first data stream of a transmission signal. When the second receiver of medium 
resolution quality and medium price is acquired together with a medium antenna, its owner can intercept and 
reproduce both the first and second data streams of the signal. When the third receiver of high resolution quality 
and high price is acquired with a large antenna, its owner can intercept and reproduce all the first second, and 
third data streams of the signal. 

If the first receiver is a home-use digital satellite broadcast receiver of low price, it will overwhelmingly be 
welcome by a majority of viewers. The second receiver accompanied with the medium antenna costs more and 
will be accepted by not common viewers but particular people who wants to enjoy HDTV services. The third 
receiver accompanied with trie targe antenna at least before the satellite output is increased, is not appropriated 
for home use and wilt possibly be used in relevant industries. For example, the third data stream carrying super 
HDTV signals is transmitted via a satellite to subscriber cinemas which can thus play video tapes rather than 
traditional movie films and run movie business at lower cosL ' 

When the present invention is applied to a TV signal transmission service, three different quality pictures 
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are carried on one single channel wave and will offer compatibility with each other. Although the first embodn 
ment refers to a 4 PSK. a modified 8 QAM, a modified 16 QAM, and a modified $4 QAM signal, other Sl gnals 
will also be employed with equal success including a 32 QAM, a 256 QAM, an 8 PSK, a 16 PSK. a 32 PSK 
signal. It would be understood thai the present invention is not limited to a satellite Transmission system and 
will be applied to a terrestrial communications system or a cable transmission system. 



Embodiment 2 



A second embodiment of the present invention is featured in which the physical mulU-level arrangement 
of the Hrst embodiment is divided into small sub levels through e.g. discrimination in error correction capability, 
thus forming a logic multi-level construction. In the first embodiment, each mulWevel channel has different 
levels in the electric signal amplitude or physical demodulating capability. The second embodiment offers dif- 
ferent levels in the logic reproduction ca pability such as error correction. For example, the data D, in a multi-level 
channel is divided into two. D„ and D «. components and D wl is more increased in the error correction capabh 
lity than D,. a for discrimination. Accordingly, as the error detection and correction capabflity is different between 
D, , and D,. 2 at demodulation. D u , can successfully be reproduced within a given error rate when the ON level 
of an original transmitting signal is as low as disenabling the reproduction of D t _ 2 . This will be implemented 
using the logic multi-level arrangement. 

More specifically, the logic multi-level arrangement is consisted of dividing data of a modulated multilevel 
channel and discriminating distances between error correction codes by mixing error correction codes with pro- 
duct codes for varying error correction capability. Hence, a more multi-level signal-can be transmitted. 

In fact, a D, channel is divided into two sub channels D w and D M ™* 3 D a cnannel ' B d(Vlded mt0 ^ 
sub channels D 2 _i and D 2 _ 2 . 

This will be explained in more detail referring to Fig.87 in which D,_, is reproduced from a lowest C/N signal. 
If the C/N rate is d at minimum, three components D M . D w . and D 2 . 2 cannot be reproduced while D,., is re- 
produced. If C/N is not less than c, D WJ can also be reproduced. Equally, when C/N is b, D a ., is reproduced 
and when C/N is a. D 2 _ 2 is reproduced. As the C/N rate increases, the reproducible signal levels are increased 
in number. The lower the C/N, the fewer the reproducible signal levels. This will be explained in the form of 
relation between transmitting distance and reproducible C/N value referring to Fig.86. In common, the C/N value 
of a received signal is decreased in proportion to the distance of transmission as expressed by the real line 

861 in Fig.86. It is now assumed that the distance from a transmitter antenna to a receiver antenna is La when 
C/N=a Lb when C/N=b. Lc when C/N=c. Ld when C/N=d. and Le when C/N-e. If the distance from the trans- 
mitter antenna is greater than Ld. D,_, can be reproduced as shown in Fkj.85 where the recervable area 862 
is denoted by the hatching. In other words. D w can be reproduced within a most extended area. Similarly. D,. 2 
can bo reproduced in an area 863 when the distance is not more than Lc. In this area 863 containing the area 

862 D, , can with no doubt be reproduced. In a smaller area 854, D 2 _, can be reproduced and in a smallest 
area 865. D s .,. can be reproduced. As understood, the different data levels of a channel can be reproduced 
corresponding to degrees of deciination in the C/N rale. The logic multi-level arrangement of the signal trans- 
mission system of the present invention can provide the same effect as of a traditional analog transm.ss.on 
system in which the amount of receivable data is gradually lowered as the C/N rate decreases. 

The construction of the logic multi-level arrangement will be described in which there are provided two 
physical levels and two logic levels. Fig.87 b a block diagram of a transmitter 1 which is substanbally .denbcal 
in construction to that shown in Fig.2 and described prevtously in the first embodiment and will no further be. 
explained in detail. The only difference is that error correction code encoders are added as abbreviated to ECC 
encoders. The divider circuit 3 has four outputs 1-1, 1-2. 2 : 1, and 2-2 through which four signals D Wl D„. 
D, , and D 2 2 divided from an input signal are delivered. The two signals D w and D„ are fed to two, ma.n 
and sub ECC encoders B72a.873a of a first ECC encoder 871a respectively for converting to error correct™ 



The main ECC encoder 872a has a higher error correction capability than that of the sub ECC encoder 
873a. Hence, D„ can be reproduced at a lower rate of C/N than D« a, apparent from 
of Fig.85. More particularly, the logic level of D w is less affected by declination of the ON than ^1*** 
After L, correction code encoding. D„ and D« are summed by a summer 874a to a D, signai wh.ch ,s men 
transferred to the modulator 4. The other two signals ^ and 0 2 . 2 of the divider circuit 3 are «<™"^ 
encoded by two, main and sub.ECC encoders 872b.873b of a second ECC ^^^^^!f 
tten. summed by a summer 874b to a D 2 signal which is transferred to me modulatory The nwn 
872b is higher in the error correction capability than the sub ECC encoder 873b. The modulator 4 tn turn prc- 
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duces from the two, D, and D 2 . input signals a multi-level modulated signal which is further transmitted from 
the transmitter unit 5. As understood, the output signal from the transmitter 1 has two physical levels D, and 
D 2 and also, four logic levels D U1 . D,_ 2 , Dj.,. and Dj_ 2 based on the two physical levels for providing different 
error correction capabilities. 

5 The reception of such a multi-level signal will be explained. Fig.88 is a block diagram of a second receiver 

33 which is almost identical in construction to that shown in Fig.21 and described in the first embodiment The 
second receiver 33 arranged for intercepting multi-level signals from the transmitter 1 shown in Fig.87 further 
comprises a first 876a and a second ECC decoder 876b, in which the demodulation of QAM, or any of ASK, 
PSK, and FSK if desired, is executed. 

10 As shown in Fig.88, a received signal is demodulated by the demodulator 35 to the two, D, and D 2( signals 
which are then fed to two dividers 3a and 3b respectively where they are divided into four logic levels D,. 1( 
Di-2. D 2 . 1( and D 2 . 2 . The four signals are transferred to the first 876a and the second ECC decoder 876b in 
which D M is error corrected by a main ECC decoder 877a, D,. 2 by a sub ECC decoder 878a, Dj. t by a main 
ECC decoder 877b, and D 2 _ 2 by a sub ECC decoder 878b before all sent to the summer 37. At the summer 
37, the four, D|_ 1t D v2 , D 2 _,, and D 2 _ 2 , error corrected signals are summed to a single signal which is then de- 
livered from the output unit 36. 

Since D,., and D 2 _, are higher in the error correction capability than D u2 and D 2 . 2 respectively, the error 
rate remains less than a given value although C/N is fairly low as shown in Fig.85 and thus, an original signal 

2Q will be reproduced successfully. 

The action of discriminating the error correction capability between the main ECC decoders 877a,877b and 
the sub ECC decoders 878a,878b will now be described in mode detail. It is a good idea for having a difference 
in th e error correction capability to use in the sub ECC decoder a common coding technique, e.g. Reed-Solomon 
or BCH method, having a standard code distance and in the main ECC decoder, another encoding technique 

25 in which the distance between error correction codes is increased using Reed-Solomon codes, their product * 
codes, or other long-Jength codes. A variety of known techniques for increasing the error correction code dis- 
tance have been introduced and will no more explained. The present invention can be associated with any 
known technique for having the logic multi-level arrangement. , 

The logic multMeveharrangement will be explained in conjunction with a diagram of Fig.89 showing the 

M relation between C/N and error rate after error correction. As shown, the straight line 881 represents D,_, at 
the C/N and error rate relation and the line 882 represents D,.j at the same. 

As the C/N rate of an input signal decreases, the error rate increases after error correction. If C/N is lower 
than a given value, the error rate exceeds a reference value Eth determined by the system design standards 
and no original data will normally be reconstructed. When C/N is lowered to less than e, the D, signal fails to 

35 be reproduced as expressed by the line 881 of D,_, in Fig.89. When e£C/N<d. D,.,'of the D, signal exhibits a 
higher error rate than Eth and will not be reproduced. 

When C/N is d at the point 885d, D,_, having a higher error correction capability than D UJ becomes not 
higher in the error rate than Eth and can be reproduced. At the time, the error rate of D,. 2 remains higher than 
Eth after error correction and will no longer be reproduced. 

-co When C/N is increased up to c at the point 885c. D U j becomes not higher in the error rate than Eth and 

can be reproduced. At the time, Dj., and D 2 . 2 remain in no demodulation state. After the C/N rate is increased 
further to b\ the D 2 signal becomes ready to be demodulated. 

When C/N is increased to b at the point 885b, D 2 _, of the D, signal becomes not higher in the error rale 
than Eth and can be reproduced. Al the time, the error rate of D M remains higher than Eth and will not be re- 
produced. When C/N is increased up to a at the point 885a, D 2 _ 2 becomes not higher than Eth and can be re- 
produced. 

As described above, the four different signal logic levels divided from two, D, and Dj, physical levels through 
discrimination of the error correction capability between the levels, can be transmitted simultaneously. 

^ Using the logic multi-level arrangement of the present invention in accompany with a multMevel construc- 

tion in which st least a part of the original signal is reproduced even rf data in a higher level is lost, digital signal 
transmission will successfully be executed without losing the advantageous effect of an analog signal trans- 
mission in which transmitting data is gradually decreased as the C/N rate becomes low. 

Thanking to up-to-date image data compression techniques, compressed image data can be transmitted 

5j in the logic multi-level arrangement for enabling a receiver station to reproduce a higher quality image than 
that of an analog system and aJso, with not sharply but at steps declining the signal level for ensuring signal 
interception in a wider area. The present invention can provide an extra effect of the multi-layer arrangement 
which is hardly implemented by a known digital signal transmission system without deteriorating high quality 
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image data. 
Embodiment 3 



A third embodiment of the present invention will be described referring to the relevant drawings. 

Fig.29 is a schematic total view illustrating the third embodiment in the form of a digital "TV broadcasting 
system. An input video signal 402 of super high resolution TV image is fed to an input unit 403 of a first video * 
encoder 401. then, the signal is divided by a divider circuit 404 into three, first, second, and third, data streams " 
which are transmitted to a compressing circuit 405 for data compression before further delivered. 

Equally, other three input video signals 406. 407, and 408 are fed to a second 409, a third 410, and a fourth 
video encoder 411 respectively which all are arranged identical in construction to the first video encoder 401 
for data compression. 

The four first data streams from their respective encoders 401,409.410.411 are transferred to a first mul- 
tiplexer413of a multiplexer 41 2 where they are time multiplexed by TDM process to a first data stream multiplex 
signal which is fed to a transmitter 1. 

A part or all of the four second data streams from their respective encoders 401,409,410,41 1 are transferred 
to a second multiplexer 414 of the multiplexer 412 where they are time multiplexed to a second data stream 
multiplex signal which is then fed to the transmitter 1. Also, a partorall the four third data streams are transferred 
to a third multiplexer 415 where they are time multiplexed to a third data stream multiplex signal which is then 
fed to the transmitter 1. 

The transmitter 1 performs modulation of the three data stream signals with its modulator 4 by the same 
manner as described in the first embodiment The modulated signals are sent from a transmitter unit 5 through 
an antenna 6 and an uplink 7 to a transponder 12 of a satellite 10 which in turn transmits it to three different 
receivers including a first receiver 23. 

The modulated signal transmitted through a downlink 21 is intercepted by a small antenna 22 having a 
radius r t and fed to a first data stream reproducing unit 232 of the first receiver 23 where its first data stream 
only is demodulated. The demodulated first data stream is then converted by a first video decoder 421 to a 
traditional 425 or wide-picture NTSC or video output signal 426 of low image resolution. 

Also, the modulated signal transmitted through a downlink 31 is intercepted by a medium antenna 32 having 
a radius r 2 and fed to a first 232 and a second data stream reproducing unit 233 of a second receiver 33 where 
its first and second data streams are demodulated respectively. The demodulated firstand second data streams 
are then summed and converted by a second video decoder 422 to an HDTV or video output signal 427 of high 
image resolution and/or to the video output signals 425 and 426. 

Also, the modulated signal transmitted through a downlink 41 is intercepted by a large antenna 42 having 
a radius r3 and fed to a first 232. a second 233, and a third data stream reproducing unit 234 of a third receiver 
43 where its first, second, and third data streams are demodulated respectively. The demodulated first, second, 
and third data streams are then summed and converted by a third video decoder423 to a super HDTV or video 
output signal 428 of super high resolution for use in a video theater or cinema. The video output signals 425. 
426. and 427 can also be reproduced if desired. A common digital TV signal is transmitted from a conventional 
digital transmitter 51 and when intercepted by the first receiver 23. will be converted to the video output signal 
426 such as a low resolution NTSC TV signal. 

The first video encoder 401 will now be explained in more detail referring to the block diagram of Fig.30. 
An input video signal of super high resolution is fed through the input unit 403 to the divider circuit 404 where 
it is divided into four components by sub-band coding process. In more particular, the input video signal is sepa- 
rated through passing a horizontal lowpass filter 451 and a horizontal highpass filter 452 of e.g. QMF mode to 
two. low and high, horizontal frequency components which are then subsampied to a half of their quantities by 
two subsamplers 453 and 454 respectively. The low horizontal component is filtered by a vertical lowpass filter 
455 and a vertical highpass filter 456 to a low horizontal low vertical component or H L V L signal and a low horv 
zontal high vertical component or H L V H signal respectively. The two, H t V t and H^, signals are then subsam- 
pied to a half by two subsampler 457 and 458 respectively and transferred to the compressing circuit 405. 

The high horizontal component is filtered by a vertical iowpass filter 459 and a vertical highpass filter 460 
to a high horizontal low vertical component or H„V L signal and a high horizontal high vertical component or 
H H V„ signal respectively. The two. H„V L and H„V„, signals are then subsampied to a half by two subsampler 
461 and 462 respectively and transferred to the compressing circuit 405. 

H L V L signal is preferably DCT compressed by a first compressor 471 of the compressing circuit 405 and 
transmitted from a first output 405 as the first data stream. . 

Also, H L V H signal is compressed by a second compressor 473 and fed to a second output 4S4. H„V L signal 
is compressed by a third compressor 463 and fee* to the second output 464. H„V„ signal is divided by a divider 
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465 into two, high resolution (H M V M 1) and super high resolution (H h Vh2). video signals which are then trans- 
ferred to the second output 464 and a third output 463 respectively. 

The first video decoder 421 will now be explained in more detail referring to Fig.31. The first data stream 
or D, signal of the first receiver 23 is fed through an input unit 501 to a descrambler 502 of the first video decoder 
5 421 where it is descrambled. The descrambled D, signal is expanded by an expander 503 to H L V L which is 
then fed to an aspect ratio changing circuit 504. Thus. H L V L signal can be delivered through an output unit 505 
as a standard 500, letterbox format 507, wide-screen 508, or sidepanel format NTSC signal 509. The scanning 
format may be of non-interiace or interlace type and its NTSC mode lines may be 525 or doubled to 1050 by 
double tracing. When the received signal from the digital transmitter 51 is a digital TV signal of 4 PSK mode. 
10 it can also be converted by the first receiver 23 and the first video decoder 421 to a TV picture. The second 
video decoder 422 will be explained in more detail referring to the block diagram of Fig.32. The D, signal of 
the second receiver 33 is fed through a first input 521 to a first expander 522 for data expansion and then, trans- 
ferred to an oversampler 523 where it is sampled at 2x. The overeampled signal is filtered by a vertical lowpass 
filter 524 to H L V L . AJso, the D 2 signal of the second receiver 33 is fed through a second input 530 to a divider 

15 531 where it is divided into three components which are then transferred to a second 532, a third 533, and a 
fourth expander 534 respectively for data expansion. The three expanded components are sampled at 2x by 
three oversamplers 535.536.537 and filtered by a vertical highpass 538, a vertical lowpass 539, and a vertical 
highpass filter 540 respectively. Then, H L V L from the vertical lowpass filter 524 and H L V M from the vertical high- 
pass filter 538 are summed by an adder 525, sampled by an oversampler 54 1 . and filtered by horizontal lowpass 

so filler 542 to a low frequency horizontal video signal. H„V L from the vertical lowpass filter 539 and H H V M 1 from 
the vertical highpass filter 540 are summed by an adder 526, sampled by an oversampler 544, and filtered by 
horizontal highpass filter 545 to a high frequency horizontal video signal. The two, high and low frequency, hori- 
zontal video signal are then summed by an adder 543 to a high resolution video signal HD which is further trans- 
mitted through an output unit 546 as a video output 547 of e.g. HDTV format. If desired, a traditional NTSC ' 

25 video output can be reconstructed with equal success. 

Fig.33 is a block diagram of the third video decoder 423 in which the D, and D? signals are fed through a 
first 521 and a second input 530 respectively to a high frequency band video decoder circuit 527 where they 
are converted to an HD signal by the same manner as above described. The D 3 signal is fed through a third 
input 551 to a super high frequency band video decoder circuit 552 where it is expanded, descrambled, and 

30 composed to H„V„2 signal. The HD signal of the high frequency band video decoder circuit 527 and the H„Vh2 
signal of the super high frequency band video decoder circuit 552 are summed by a summer 553 to a super 
high resolution TV or S-HD signal which is then delivered through an output unit 554 as a super resolution video 
output 555. 

The action of multiplexing in the multiplexer 412 shown in Fig.29 will be explained in more detail. Fig.34 

35 illusrates a data assignment in which the three, first, second, and third, data streams D,,D 2f D 3 contain in a 
period of T six NTSC channel data L1.L2.L3.L4.L5.L6, six HDTV channel data M1.M2.M3.M4.M5.M6 and six 
S-HDTV channel data H1.H2.H3.H4.H5.H6 respectively. In action, the NTSC or D, signal data L1 to L6 are 
time multiplexed by TDM process during the period T. More particularly, H L V L of D, is assigned to a domain 
601 for the first channel. Then; a difference data M1 between HDTV and NTSC or a sum of H,V H , H H V l( and 

*o H M V M 1 is assigned to a domain 602 for the first channel. Also, a difference data H1 between HDTV and super 
HDTV or H M V H 2 (See Fig.30) is assigned to a domain 603 for the first channel. 

The selection of the first channel TV signal will now be described. When intercepted by the first receiver 
23 with a small antenna coupled to the first video decoder 21, the first channel signal is converted to a standard 
or widescreen NTSC TV signal as shown in Fig.31, When intercepted by the second receiver 33 with a medium 

^5 antenna coupled to the second video decoder 422, the signal is converted by summing L1 of the first data stream 
D, assigned to the domain 601 and M1 of the second data stream Dj assigned to the domain 602 to an HDTV 
signal of the first channel equivalent in program to the NTSC signal. 

When intercepted by the third receiver 43 with a large antenna coupled to the third video decoder 423, the 
signal is converted by summing L1 of D, assigned to the domain 601, M1 of 0 7 assigned to the domain 602. 

50 and H1 of D, assigned to the domain 603 to a super HDTV signal of the first channel equivalent in program to 
the NTSC signal. The other channel signals can be reproduced in an equal manner. 

Fig.35 shows another data assignment in which L1 of a first channel NTSC signal is assigned to a first do- 
main 601. The domain 601 which is allocated at the front end of the first data stream D,. also contains at front 
a dataS11 including a descrambling data and the demodulation data described in the first embodiment A first 

55 channel HDTV signal is transmitted as L1 and Ml. M1 which is thus a difference data between NTSC and HDTV 
is assigned to two domains 602 and 611 of D 2 . If L1 is a compressed NTSC component of 6 Mbps, M1 is as 
two times higher as 12 Mbps. Hence, the total of L1 and M1 can be demodulated at 18 Mbps with the second 
receiver 33 and the second video decoder 423. According to cun*ent data compression techniques. HDTV com- 
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nressed sionals ran be reproduced at about 15 Mbps. This allows the data assignment shown m Fig.35 to en- 
beslSou^ 

no ee^ channe H D^ signal to be earned. S21 is a descrambiing data in me HDTV signal. A first channel 
perH^W 

603 612 and 613 o( 0,. If the NTSC signal is 6 Mbps. the super HDTV is earned at as h.gh as 36 Mbps. When 
ae^res— 

ma size Dicture (or commercialese can be transmitted with an equal manner. 

K a NTSC compressed signal is 6 Mbps. this assignment can carry as mne hrnes h,gher as 54 Mbps of D, data. 
Accordinalv suoer HDTV data of higher picture quality can be transmitted. 

ThetLoing data assignment mates the use of one of two. horizontal and vertical polanzabon planes 

ofa«nsm™ 

zation will be doubled. This will be explained below. . 

Fk,. 9 shows a data assignment in which Dv, and Dh, are a vertical and a horaontel P^J™ * V»" 
the fet data stream respectively. Dv, and D H1 are a vertical and a horizontal polanzation «' 
dYJSeam respertvely and Dv, a"d D„ are a vertical and a horizontal polarization s,gnal of the th,rd date 
^mespect^ 

or NTSC TV data and the horizontal polarization signal D H1 carries a h,gh frequency ^^J^™ 
L first receiver 23 is equipped with a vertical polarization antenna, it can reproduce only the NTSC sgnal 
Wen m Z r r 2* is equipped with an antenna for both horizontally and vertically polarued waves 
rnTep^e^HDTVsignlLgh — 

compatibility between NTSC and HDTV with the use of a particular type antenna 

Fig solstrates a TDMA method in which each data burs. 721 is accompany at front a sync data 731 
. Jl" " ° ' , * , 71 A , s0 . frame sync data 720 is provided at the front of a frame. Like channels are assigned 
£S 4 ^ amp,^^ 

d v ZTZSeh o, continuous s^nals as shown in Fig.49 wOl be employed witt, equal success. Also, a 
daTa^Lment shown in Fig.51 will permit a HDTV signal to be reproduced at high resolubon. 

A^sL. forth abovl the compatible digital TV signal transmission system of the third embodiment can offer 
m ree super h5tV" 

are allocated ^^^^ ^ me Uxis ano ^ Q-axis of the coordinate. It is now assumed 
JX 16 SRQAM, the signal point 83a of 16 OA* is shifted to a signal 

J , 83 where me distance from each axis is nJ. The shift value n is thus expressed as. 
^ 0<n<3. 

The other signal points 84a and 86a are aiso shifted to ^.P™* « ="d 86 respectively. 
If me error rate of me first data stream is Pe„ it is obta.ned from: 

Pei-w= T" ( «fc iq=r ) + crfc ) 

)... 

Also, the error rate Pe a of me second data stream is obtained from: 
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PcM6= crfc 
— -y- erf c 

The error rate of 36 or 32 SRQAM will be calculated. Fig.100 is a vector diagram of a 36 SRQAM signal 
in which the distance between any two 36 QAM signal points is 26. 

The signal point 83a of 36 QAM is spaced fi from each axis of the coordinate. It is now assumed that n is 
a shift value of the 1 6 SRQAM. In 36 SRQAM, the signal point 83a is shifted to a signal point 83 where the 
distance from each axis is n6. Similarly, the nine 36 QAM signal points in the first quadrant are shifted to points 
83,84,85,86, 97,98,99,100,101 respectively. If a signal point group 90 comprising the nine signal points is re- 
garded as a single signal point, the error rate Pe 1 in reproduction of only the first data stream D, with a modified 
4 PSK receiver and the error rate Pe 2 in reproduction of the second data stream D 2 after discriminating the 
nine signal points of the group 90 from each other, are obtained respectively from: 



Pel-32 = JL erfc ( i ) 

H- crfc #x^= 

6 I 5 </ nH-2n + 2i 

/ 5-n $ . 

Pe2-32=-i_ crfc (~7F ~T' 

3 4-f 2 /» 

— crtc \^ X y n i+2n + 25 



Fig.101 shows the relation between error rate Pe and C/N rate in transmission in which the curve 900 rep- 
resents a conventional or not modified 32 QAM signal. The straight line 905 represents a signal having 10-u 
of the error rate. The curve 901a represents a D t level 32 SRQAM signal of the present invention at the shift 
rate n of 1.5. As shown, the C/N rate of the 32 SRQAM signal is 5 dB lower at the error rate of 10* |J than that 
of the conventional 32 QAM. This means that the present invention allows a D, signal to be reproduced at a 
given error rate when its C/N rate is relatively low. 

The curve 902a represents a D 2 level SRQAM signal at n=1,5 which can be reproduced at the error rats 
of 10-'- 5 only when its C/N rate is 2.5 dB higher than that of the conventional 32 QAM of the curve 900. Also, 
the curves 901b and 902b represent D t and D 2 SRQAM signals at n=2.0 respectively. The curve 902c repre^ 
sents a D 2 SRQAM signal at n=2.5. It is apparent that the C/N rate of the SRQAM signal at the error rate of 
10- 1 - 5 is 5dB, 8dB, and 10dB higher at n=1.5. 2.0, and 2.5 respectively in the D, level and 2.5dB lower in the 
D 2 level than that of a common 32 QAM signal. 

Shown in Ftg.103 is the C/N rate of the first and second data streams D,,D 2 of a 32 SRQAM signal which 
is needed for maintaining a constant error rate against variation of the shift n. As apparent, when the shift n is 
more than 0.8, there is developed a clear difference between two C/N rates of their respective D x and D 2 levels 
so that the multi-level signal, namely first and second data, transmission can be implemented successfully. In 
brief. n>0.85 is essential for multi-level data transmission of the 32 SRQAM signal of the present invention. 

Fig. 102 shows the relation between the C/N rate and the error rate for 16 SRQAM signals. The curve 900 
represents a common 16 QAM signal. The curves 901 a.901b.901c are D, level orftrst data stream 16 SRQAM 
signals at n=1_2. 1 .5. and 1.8 respectively. The curves 902a.902b.902c are D 2 level or second data stream 1 6 
SRQAM signals at n=1.2, 1.5, and 1,8 respectively. 

The C/N rate of the first and second data streams Di,D 2 of a 16 SRQAM signaJ is shown in Fig. 104. which 
is needed for maintaining a constant error rate against variation of the shift n. As apparent, when the shift n is 
more than 0.9 (n>0,9), the multi-level data transmission of the 16 SRQAM signal will be executed. 

One example of propagation of SRQAM signals of the present invention will now be described for use with 
a digital TV terrestrial broadcast service. Fig. 105 shows the relation between the signal level and the distance 
between a transmitter antenna and a receiver antenna in the terrestrial broadcast service. The curve 91 1 rep- 
resents a transmitted signal from the transmitter antenna of 1250 feet high. It is assumed that the error rate ■ 
essential for reproduction of an applicable digital TV signal is 10- 1 -*. The hatching area 91 2 represents a noise 
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interruption. The point 910 represents a signal reception limit of a conventional 32 QAM signal at C/N=15 dB 
where the distance L is 60 miles and a digital HDTV signal can be intercepted at minimum. If a change in the 
relevant condition, e.g. weather, attenuates the C/N rate, the interception of an HDTV signal will hardly be en- 
sured. Also, geographical conditions largely affect the propagation of signals and a decrease of about 10 dB 
at least will be unavoidable. Hence, successful signal interception within 60 miles will never be guaranteed and 
above all. a digital signal will be propagated harder than an analog signal. It would be understood that the ser- 
vice area of a conventional digital TV broadcast service is less dependable. 

As described previously, the 32 SRQAM signal of the present invention permits a medium resolution TV 
data of e.g. NTSC system to be carried on the first data stream D, and a high frequency component of HDTV 
data to be carried on the second data stream D : . Accordingly, the service area of the first data stream of the 
SRQAM signal is increased to a 70 mile point 910a while of the second data stream remains within a 55 mile 
point 910b, as shown in Fig.105. Fig.106 illustrates the service area of the 32 SRQAM signal of the present 
invention, which is similar to Fig.53 but explains in more detail. As shown, the regions 708,703a,703b,712 rep- 
resent a conventional 32 QAM receivable area, a first data level receivable area, a second data level D 2 
receivable area, and a service area of a neighbor analog TV stabon respectively. 

For common 32PAM signal, the 60-mile-radius service area can be established theoretically. The signal 
level will however be attenuated by geographical or weather conditions and particularly, considerably declined 
at near the limit of the service area. 

The service area of the 32 SRQAM signal of the present invention is increased by 10 miles in radius for 
reception of the first level D, or medium frequency TV data of NTSC system although decreased by 5 miles 
for reception of the second level-D 2 or high frequency TV data of HDTV system, as shown in Fig.106. 

More particularly, the medium resolution component of a digital TV broadcast signal of the SRQAM mode 
of the present invention can successfully be intercepted in an unfavorable service region or shadow area where 
a conventional medium frequency band TV signal is hardly propagated and attenuated due to obstacles. Within 
at least the predetermined service area, the NTSC TV signal of the SRQAM mode can be intercepted by any 
traditional TV receiver. A$ the shadow or signal attenuating area developed by building structures and other 
obstacles or by interference of a neighbor analog TV signal or produced in a low land is decreased to a minimum, 
TV viewers or subscribers will be increased in number. 

Also, the HDTV service can be appreciated by only a few viewers who afford to have a set of high cost 
HDTV receiver and display, according to the conventional system. The system of the present invention allows 
a traditional NTSC. PAL. or SECAM receiver to intercept a medium resolution component of the digital HDTV 
signal with the use of an additional digital tuner. A majority of TV viewers can hence enjoy the service at less 
cost and will be increased in number. This will encourage the TV broadcast business and create an extra social 
benefit. 

Furthermore, the signal receivable area for medium resolution or NTSC TV service according to the present 
invention is increased about 36% at n=2.5. as compared with the conventional system. As the service area 
thus the number of TV viewers is increased, the TV broadcast business enjoys an increasing profit This reduces 
a risk in the development of a new digital TV business which will thus be encouraged to put into practice. 

Fig. 107 shows the service area of a 32 SRQAM signal of the present invention in which the same effect 
will be ensured at n=1.8. Two service areas 703a,703b of D, and D 2 signals respectively can be determined 
in extension for optimum signal propagation by varying the shift n considering a profile of HDTV and NTSC 
receiver distribution or geographical features. Accordingly, TV viewers will satisfy the service and a supplier 
station will enjoy a maximum of viewers. 

This advantage is given when: 

n>1.0 

Hence, if the 32 SRQAM signal is selected, the shift n is determined by: 

1<n<5 

AJso, rf the 16 SRQAM signal is employed, n is determined by. 

1<n<3 

In the SRQAM mode signal terrestrial broadcast service in which the first and second data levels are 
created by shirting corresponding signal points as shown in Figs.99 and 100, the advantage of the present in- 
vention will be given when the shift n in a 16, 32. or 64 SRQAM signal is more than 1.0. 

Embodiment 4 - ■ 

A fourth embodiment of the present invention will be described referring to the relevant drawings. 
Fig.37 illustrates the entire arrangement of a signal transmission system of the fourth embodiment, which 
is arranged for terrestrial service and similar in both construction and action to that of the third embodiment 
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shown in Fig.29. The difference is thai the transmitter antenna 6 is replaced with a terrestrial antenna 6a and 
the receiver antennas 22.32,42 are replaced with also three terrestrial antennas 22a.32a.42a. The action of 
the system is identical to that of the third embodiment and will no more be explained. The terrestrial broadcast 
service unlike a satellite service depends much on the distance between the transmitter antenna 6a to the re- 
5 ceiver antenna 22a.32a,42a. If a receiver is located far from the transmitter, the level of a received signal is 
low. Particularly, a common multi-level QAM signal can hardly be demodulated by the receiver which thus re- 
produces no TV program. 

The signal transmission system of the present invention allows the first receiver 23 equipped with the anten- 
na 22a, which is located at a far distance as shown in Fig. 37, to intercept a modified 16 or 64 QAM signaJ and 
10 demodulate at 4 PSK mode the first data stream or D, component of the received signal to an NTSC video 
signal so that a TV program picture of medium resolution can be displayed even if the level of the received 
signal is relatively low. 

Also, the second receiver 33 with the antenna 32a is located at a medium distance from the antenna 6a 
and can thus intercept and demodulate both the first and second data streams or D, and D 2 components of 
15 the modified 1 6 or 64 QAM signal to an HDTV video signaJ which in turn produces an HDTV program picture. 

The third receiver 43 with the antenna 42a is located at a near distance and can intercept and demodulate 
the first, second, and third data streams or D,. D 2 , and D 3 components of the modified 16 or 64 QAM signal to 
a super HDTV video signal which in turn produces a super HDTV picture equal in quality to a common movie 
picture. 

20 The assignment of frequencies is determined by the same manner as of the time division multiplexing 
shown in Figs.34, 35, and 36. Like Fig.34, when the frequencies are assigned to first' to sixth channels, L1 of 
the D, component carries an NTSC data of the first channel, M1 of the D 2 component carries an HDTV difference 
data of the first channel, and H1 of the D 3 component carries a super HDTV difference data of the first channel. 
Accordingly, NTSC, HDTV, and super HDTV data all can be carried on the same channel. If D 2 and D 3 of the 

25 other channels are utilized as shown in Figs.35 and 36, more data of HDTV and super HDTV respectively can 
be transmitted for higher resolution display. 

As understood, the system allows three different but compatible digital TV signals to be carried on a single 
channel or using D 2 and D 3 regions of the other channels. Also, the medium resolution TV picture data of each 
channel can be intercepted in a wider service area according to the present invention. 

20 A variety of terrestrial digital TV broadcast systems employing a 1 6 QAM HDTV signal of 6 MHz bandwidth 

have been proposed. Those are however not compatible with the existing NTSC system and thus, have to be 
associated with a simulcast technique for transmitting NTSC signals of the same program on another channel. 
AJso. such a common 1 6 QAM signal limits a service area. The terrestrial service system of the present invention 
allows a receiver located at a relatively far distance to intercept successfully a medium resolution TV signal 

J5 with no use of an additional device nor an extra channel. 

Fig.52 shows an interference region of the service area 702 of a conventional terrestrial digital HDTV broad- 
cast station 701 . As shown, the service area 702 of the conventional HDTV station 701 is intersected with the 
service area 712 of a neighbor analog TV station 71 1. At the intersecting region 713, an HDTV signal is at- 
tenuated by signal interference from the analog TV station 711 and will thus be intercepted with less consis- 

*o tency. 

Fig.53 shows an interference region associated with the multi-level signal transmission system of the pre- 
sent invention. The system is low in the energy utilization as compared with a conventional system and its ser- 
vice area 703 for HDTV signal propagation is smaller than the area 702 of the conventional system. In contrary, 
the service area 704 for digital NTSC or medium resolution TV signal propagation is larger than the conventional 

45 area 702. The level of signal interference from a digital TV station 701 of the system to a neighbor analog TV 
station 711 is equivalent to that from a conventional digital TV station, such as shown in Fig.52. 

In the service area of the digital TV station 701, there are three interference regions developed by signal 
interference from the analog TV station 71 1, Both HDTV and NTSC signals can hardly be intercepted in the 
first region 705. Although fairly interfered, an NTSC signal may be intercepted at en equal level in the second 

50 region 706 denoted by the left down hatching. The NTSC signal is carried on the first data stream which can 
be reproduced at a relatively low C/N rate and will thus be minimum affected when the C/N rate is declined by 
signal interference from the analog TV station 711. 

At the third region 707 denoted by the right down hatching, an HDTV signal can also be intercepted when 
signal interference is absent while the NTSC signal can constantly be intercepted at a level. 

ss Accordingly, the overall signal receivable area of the system will be increased although the service area 

of HDTV signals becomes a bit smaller than that of the conventional system. Also, at the signal attenuating 
regions produced by interference from a neighbor analog TV station, NTSC level signals of an HDTV program 
can successfully be intercepted as compared with the conventional system where no HDTV program is viewed 
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in the same area. The system of the present invention much reduces the s* of s gnal .turnup «» and 
when increases the energy of signal transmission at a transmitter or transponder stahon can extend the HDTV 
Sna «rv ice area to an equal size to the conventional system. Also. NTSC level signals of a TV program ear. 
be«edmoreo^ 

interference area caused by an adjacent analog TV station. 

Although the embodiment employs a two-level signal transmissan method, a three-level *»*« * 

shown in Rg.78 will be used with equal success. If an HDTV signal is divided into , 
NTSC. and low resolution NTSC. the service area shown in Fig.53 wBI be .ncreased from two levels to three -- 
levels where the signal propagation is extended radially and outwardly. Also, low resolution NTSC s.gnals can 
be received at an acce table level at the f,rst signal interference region 705 where NTSC «r. : hardly- 
be intercepted in the twoJevel system. As understood, the signal interference .s also involved from a d.gital TV- 
station to an analog TV station. . 

The description will now be continued, provided that no digKal TV station should caus. ,as,gnal "M"*™ 
to any neighbor analog TV stalion. According to a novel system under considerabon .n USA. no^se channels 
- «""»d for HDTV and thus, digital signals must »> <«^^ "*» 
signals For L purpose, the transmitting level of a digital signal has to be decreased ower than mat shown 

Ag 53- » the digtol signal is of conventional 16 QAM or 4 PSK mode, its HDTV serv.ce area 708 become, 
deceased as the signal interference region 713 denoted by the cross hatching is W^™*^'"^ 
ThTresuKs in a less number of viewers and sponsors, whereby such a digital system wil. have much d.fficulty 

to operate for profitable business. ..rvrw 

Fig.55 shows a simBar result according to the system of the present invent™. As apparent, the HDTV s^ 
receivable area 703 is a bit smaller than the equal area 70S of the convectional system. However, he tower 
resolution or NTSC TV signal receivable area 704 will be increased as compared w,th the convenbonalsystem. 
The hatching area represents a regton where the KTSC level S K,nal of a ^^H^JlZmS^l ■ 
HDTV signal of the same is hardly intercepted. At the first interference region 705. both HDTV and NTSC signals 
cannot be intercepted due to signal interference from an analog station 711. 

When the level of signals is equal, the multi-level transmission system of the present .nvention ^"des a 
smaller HDTV service area and a greater NTSC service area for interception of an HDTV program at an NTSC 
J evel^i nal. According., I overal, service area of each station is incased and more viewers can ; 
enjoy its TV broadcasting service. Furthermore. HOTV/NTSC compatible TV business can be operated with 
eclnomica. advantages and consistency. It is also intended that the level of a transmitting signal ,s .ncreased 
^en m control on averting signal interference to neighbor analog TV stations is lessened arrespondrng to 
Thai Lease in me numUf home.se digita, rece^er, Hence, the «J-^2^ScSSS 
increased and in this respect, me two different regions for intercept™ of HDTV/NTSC and NTSC digital TV 
sTnal levels respectively, shown in Fig.55. can be adjusted in proportion by varymg the signal point distance 
fn^e St an*or second data streams As the firs, data slream carries information abou, me signal po-nt d.s- 
tance. a multi-level signal can be received with more certainty. 

Fig.56 illusb3.es signal interference between two digital TV stations .n which a W .Won 701- 

also provides a digital TV broadcast service, as compared with an analog statin in F.g 51 S'"« * e J^ °' 
admitting signal becomes high. theHDTV service orhighreso.utionTVs«narecervab.earea703 become, 
is increased to an extension equal to me service area 702 of an analog TV system. . 

IT^e n ersecting region 714 between two service areas of their respective stations, the recced s-gnd 
At the ™ erse «'"9 «9 of a directional antenna due to s.gnal 

can be reproduced not to an HDTV leve^ an , enna direete(J towards a desired TV 

^™ ^rstss:::. m p e ^ ^ a r , 

an HDTV oicture The low resolution signal receivable area 704 is increased larger man the analog TV system 
ted. Accordingly, signal attenuating or shadow regions in me serv,ce area w.ll be mtnim,ied. 
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Embodiment 5 



,u„tT,^ PfeSem inVenB ° n resid " in amplilude adulation or ASK procedure. Fig.57 B. 

o u r s r n ri a t gn T' T* POi " tS °' 8 *" eVtl ASK Si9nal aceordin9 ,0 0,6 «" embodiment, in which 
tour s^nal po,nts are denoted by 721. 722. 723. and 724. The fouMevel transmission permits a 2-bit data to 

o^™ '?n 77 ^ PCri0d - " ' S aSSUmed BW lhe ,0UrSi9nal pointe 721.722.723.734 represent twc-bi. 
patterns 00,01,10, 11 respectively. 

=* iM 1 eWel ^ lransmission of »• embodiment, the two signal points 721.722 are designated 

£ S T T " 5 916 ° ther to0 " 3724 are desi 9 nated as a se <=°« d «■>«" P°i"< 9roup 726. 
™ r ,ee " , ^ S,9n! " P ° im 9r ° UPS 725 and 726 is men detemined •««• than that befcreen 

any two adjacent s-gnal points. More specifically, the distance Lo between the two signals 722 and 723 is ar- 

re^ed a" L ^ ^ adiaCen ' P 0 "* 1 721 and 722 " 723 and 724 ' This « «P- 

Lo>L 

how^;^ r'T'r' , Si9nal transmission «»*«" <* embodiment is based on Lo>L The embodiment is 

men* 0 Z ^v° >L L=L ° Wi " be emP ' 0yed temp0rarily depending on the requi" 

ments of design, condition, and setting. <=h"»^ 

More particulariy a bit 0 o, binary system is assigned to the first signal point group 725 and another bit 1 to 

sL\ Z n,T P ° , 9 T 726 - Then ' 3 ° ne - bi ' Pattern °' the SeCOnd data "*™ °> * assigned to each 
an £1 FOreXa 7' e ' fe ^signal points 721.723 are assigned O 2 =0 and the other two sk,nal points 72 
and 724 are assigned D 2 =1. Those are thus expressed by two bits per symbol 

use LtTfalT' Sl - nal ' ranSmiSsi0n 0f *• P resenl in ™ti°n «" be implemented in an ASK mode with the 
- 11 r k i ^"1 P °' n ' aSS ' 9nmenL The » o' Present invention worxs in the same manner 

ZVZ ZtZ IT T f distance lechnique when the si9nal ,0 ™ e rati0 or C/N * S< 

™, L r °? "° data be repr0dUCed * the ""^ntional technique, the present system 

?S5S. 75S^r. * « ! Sl9n ! P °' ntS tranSmitted afe diSpla " d by a Gaussian distributi0 '' «° ^"9es 
d isS„ '„ »! t! ^ ^ 31 ' he reC6iVer S ' de due 10 noise and emission AttBon. Therefore the 
d,sunct*,n between the two signals 721 and 722 or 723 and 724 will hardly be executed. In other words Z 

o Los 2S 1" 7 U ,f r 0U,er 6 *° Si9 " al P ° inlS 723J24 - The distincton "e<ween L ^ signal oW 
^lowefe™^ 

bo^hTf^ 9 J y H me ^ diffefenl level data D > and 0. =an be transmitted simultaneously. More particularly 
both the first and second data streams D, andD, of a given signal transmitted through the mulJevel tranv 

£ZZZFZ?-Z rePr0dUCed a * afCa Wh6re ^ C/N ra ' e is and the "« data «•»-" D o '7-n 
be reproduced in the area where the C/N rate is low. X 

743 an^a 1 'L^T* °' * * anS,T, " ler 741 * W " ieh a " inpU ' Unil 742 """P*" a data '"am input 

S h k ! r 9 ^ ' nPUl S ' 9na ' f6d aC,0&S 3 pfOCessof 745 from »* input unit 743. The modulated 
output unH 748 " ' ^ * " ^ ^ °' ^ VS3 m0d6 ^ b °«» deli "' ed *^ « 

nf J A^ V ^7.°? e ^ Si9 C al al>er r,Uerin9 "° W bC examined - Fi 9' 62 " a shows a frequency spertum 
on! „, * ^ k ?" 3 m WhiCh ^ S ' debandS afe pmvided on bolh sides °' the «mer frequency band, 
^n, „ « T* a c nd c:\ e ' i r inated WUh ' he nile ' 474 '° produce 3 si 9" al 749 ""tains a canier com- 
ponent as shown ,n F,g.62-b. The signal 749 is a VSB signal and if the modulation frequency band is fo. will 
be fransmrtled ,n a frequency band of about fo/2. Hence, the frequency utilisation becomes high. Using VSB 
mode transmission, the ASK signal of two bit per symbol shown in Fig.60 can thus cany in the frequency band 
an amount of data equal to that of 16 QAM mode at lour bits per symbol 

32, htf dla r m °' 3 ' eCeiVer 751 m Which an input si9nal '"tercepted by a terrestrial antenna 

.-t t£ Tu ^ 9 a " mPUl Unit 752 '° 3 mUer 753 Where il is mbted wilh a sianal *«• a variable oscil- 

k *. * TTm ! y , nne ' " leCli0n 10 3 ' 0Wer medium (requency si9nal - 1,16 Sl '9 nal from the mixer 753 
• then detected by a detector 755 and ffltered by an LPF 756 to a baseband signal which is transferred to a 

n "^ eP " C,rCU,t 157 ■ ™ e discn ^tion/reprod U ction drcuit 757 reproduces two. first D, and 
second D 3 . data streams from the baseband signal and transmit them further through a first 758 and a second 
oata stream output 759 respectively. 

The transmission of a TV signal using such a transmitter and a receiver will be explained. Fig.64 is a blodc 
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diaoram of a video signal transmitter 774 in which a high resolution TV signal, e.g. an HDTV signal is fed 

frequency TV signal components denoted by e.g. H t V l .H l V M .K,V l . and H„V H . Th.s .ebon ■ -d nbcal to that 
of me third embodiment previously described referring to Fig.30 and £™ 

four separate TV signals are encoded respectively by a compressor 405 us.ng a known DPCMDCT vanable 
th ^de ncoding technique which is commonly used e.g. in MPEG. Meanwhile the ™^±™^ 
of the signal is carried out at the input unit 403. The compressed signals are summed by a summe 771 to two 
t. Second, data streams D..D, The low frequency vKeo signal component or W^<^££ 
in the firs, data stream D,. The two date stream signals D,.D, are then transferred to a firs 743 and a second 
data stream input 744 of a transmitter unit 741 where they are amplitude modulated and summed to an ASK 
signal of e.g. VSB mode which is propagated from a terrestrial antenna for broadcast service 

Fig.65 b a block diagram of a TV receiver for such a digital TV broadcast system. Adigtal TV sgnalm- 
tercepL by a terrestrial antenna 32a is fed to an input 752 of a receiver unit 751 m tte TV recenrer 76 */Th 
signal is then transferred to a detection/demodulate circuit 760 where a desred channe s^nal elected 
and demodulated to two. first and second, data streams D..R, which are then fed to a firs 758 and a second 
dastrTm output 759 respectively. The action in * * ^ »™<^»Z£g 

and will no more be explained in detail The two data streams D,. Dj are sent to a in whu* D 

is divided by a divider 777 into two components: one or compressed H U V, is transferred to a first ^put 521 o 
a second video decoder 422 and the other is fed to a summer 778 where k is summed w*h D 2 pnor to transfer 
^ a sSnd Tput 531 of the second video decoder 422. Compressed H L V L is then sent from toe first mput 521 
to a finsTexprnd "23 where it is expanded to of the origina. length which is then transferred to a v,deo 
mixeSsanda pe CtrafoC hangin 9 drcuU 

rwLscVeen^TSCsignal. Wher 'the same isanNTSCsignal.H^represenUalowerresolut.onv.deos.gnal. 

e a. MPEGI, than an NTSC level. 

The input TV signal of the embodiment is an HDTV signal and H L V L becomes a vnde-screen NTSC sjgnal 
If the aspect ratio of an available display is 16:9. is directly delivered trough an output un* as a 16.9 
i eo ouS 26. „ ,he disW has an aspect ratio of 4:3. H L V t « shifted by the aspect rafo cha^ng ctrcu, 
779~ a letterbox or sidepanel format and then, delivered from the output un,t 760 as a correspondmg forma. 

"^Tc^data stream D 2 fed from the second data stream output 759 to the summer 778 is summed 
vJheou*^ 

Tecoder 422. The sum signal is further transferred to a divider circuit 531 where rt ,s drvded tn.o mree corn- 
p e" ed forms of H t V M . H H V, and H„V, The three compressed signals «t»M »*^J£££ 
536. andafourthexpanderS37respectjvelyfor converting by ex P anslon fl 10 H ^ „ 
length. The three skjna.s are summed with W by the video mixer 548 to j . composrte 
fed through an output 546 of the second video decoder to the output unit 780. Ftnally. the HDTV S ,gnal .s de- 
livered from the output unit 780 as an HDTV video signal 427. jrf.,..!™.™ 
The outputunil 780 is arranged for detect an error rate in the second data streamof the second dato stream 
outpu"75 9 *lgha n errorra«e Lector 782 and if the errorrate is high, delivering H t V L of low resolubon v,deo 

^W^ZZ^* wider area^and delayed at a picfcre quaiity ranging from HDTV to 

mS r*SB a bio* diagram showing another arrangement of the TV receiver. As sho^the 

751 covins only a rVst data stream output 768 and thus, the processing of the *°™"**** e ™"?™ 

d not needed so that the overail conslruction can be minted £ J ^ -dea to hav ££££ 
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analog toon issentdirerty.o .he dem* E^tS^ ^T^ ^ ^ ^ rf 

discrimination/ reproducing circuit 757 vT!f L w de ™ dulat ™- The signal of digital form is then fed to a 
and Dj are converted ^^^Zl^^ D ^ m ' V ^^^i 
lite analog TVsignalisLsferTe 
><> signal which is then delivered from the outou. un^a a, h ° demodulated to a " analog video 
shown in Fig.67 is arranged J^^J^^^^^^'^^ 
cerver circuit induding a detector 755^ S^^ST^ T "** ^ 8 » 
compatible wH, a digital ASK skjnal of the terr«« a , TV setvi«T T 09 Si9nal * ulil «^ 

Fio.68. it can be Emitted h a on,bft T D ^rT' " "" - " Sh ° W " h 

D, -s assigned .o eight signal points 721*7215.722^^'^,^^^.*^ 

o a two-bit pattern, and D, is assigned to two laroe sional L„. „ U " J ^- n3 - 72 ^ hvo groups representing 
.^Par^lady.misise^^^ 

beelp^ed^ . 

will no longer be explained in detail. Two vWeo Inl, dl S m ° dified a " an 9 e ™"< is similar and 

mers are provided forming a drv«er JS^^SSSJ 4 ^ ^ **" ^ "< 
mthe block diagram ofFig.70.in which a signal passes a" oss^r?!, 6 mc " Simple as sho »" 

' ^-Modespecfelly.avideosignalofe. XZSS^'" ,,h * l,ta 
pressed by a time-base compressor 795 and fed .1 «,„ HDTVfron ' »e input unit 403 is bme-base eom- 

rcrnain «"med to <he posibon 1 so that H^H J i ^ V J ' ™.**3.765b.765c 
405. M eanwhile,H lV Hisfedback<hro;gh;^ 10 a "jessing circuit 

At a second cycle, the four switches 765 765a 6™ 65 C ~ „ ' '° ' ime - baSe co "-P^or795. 
nents of the dMder circu* 404 are simultarS £ nSrrec , Te c o ^ ' "* a " ^ 
divider uni.794 of FigJOan^ngedfortimediv^npVoS 

dividing circuit form. Passing of an input signal can be constructed in a simpler 

position 1. Hence. H^, H V H H„V, and H V J 76 S.765a.765b,765c,765d remain turned to the 

fourth expander 5 ^ Second "2a. a third 52 2b and a 
video signal. The video signal which represents V H o a ,T7 Wher<i are mbted to a ^ngle 
trough the terminal! ofthe switch 7^SX^T"^^ bteW ^ 
swipes 765.765a.765b.765c are turned to Z S£ 2 Thus ^T^vTm"^ ^ '° Ur 
transferred to the mixer 556 where thev are mivpHM, 7 T ' HmVi " K W" 41 - and Wi-H are 

2- the switch 7***^5£^X^*™*»*um**m^L£ 
In this manner of time division processing of a three-level sional ^ ™- 

More particulaily. four components H^W S V I et^ * reP ' aCed one m « er - 
Then H I^H. H hVi -H. and H H V H are fed at £l"CK f ^ a ' «" *» "»** 
H^-L to a target video signal. It is thus essential to oerform T. 1 6 fmt " mn9 and nixe<f witn 

lf.be four component ovedapped eac^e ITZXT^LT 
me-base adjusted to a given sequence through using memoes ' J m ^ ""'"^ " ave 10 be ^ 

765.765a.n5b.765c.,n,he,oregolngmanne^si 9 „a 9 ,rrs m ^^^^^ 

nsmined from the transmitter at two different tim- 
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ing periods as shown in Fig.73 so that no time-base controlling circuit is needed in the receiver which is thus 
arranged more compact 

As shown in Fig.73, D, is the first data stream of a transmitting signal and HlVl.HlVh.HkVl, and H H V H are 
transmitted on D, channel at the period of first timing. Then, at the period of second timing. H l Vh-H, H h V l -H. 
and HhVk-H are transmitted on D 2 channel. As the signal is transmitted in a time division sequence, the encoder 
in the receiver can be arranged more simple. 

The technique of reducing the number of the expanders in the decoder will now be explained. Fig.74-b. 
shows a time-base assignment of four data components 810.810a,B10b, 81 0c of a signal. When other four data 
components 811.811a. 811b.811c are inserted between the four data components 811, 811a.811b,811c re- 
spectively, the latter can be transmitted at intervals of time. In action, the second video decoder 422 shown in 
Fig.74-a receives the four components of the first data stream D, at a first input 521 and transfers them through 
a switch 812 to an expander 503 one after another. More particularly, the component 810 first fed is expanded 
during the feeding of the component 81 1 and after completion of processing the component 810. the succeeding 
component 810a is fed. Hence, the expander 503 can process a row of the components at time intervals by 
the same time division manner as of the mixer, thus substituting the simultaneous action of a number of expan- 
ders. 

Fig.75 is a time-base assignment of data components of an HDTV signal, in which H t V L (1) of an NTSC 
component of the first channel signal for a TV program is allocated to a data domain 821 of D, signal. Also. 
H L V„,H H V L , and H H V H carrying HDTV additional components of the first channel signal are allocated to three 
domains 821a.B21b.821c of D 2 signal respectively. There are provided other data components 
822.822a.822b,822c between the data components of the first channel signal which can thus be expanded with 
an expander circuit during transmission of the other data. Hence, all the data components of one channel signal 
will be processed by a single expander capable of operating at a higher speed. 

Similar effects will be ensured by assignment of the data components to other domains 
821 ,821a,821 b,821c as shown in Fig.76. This becomes more effective in transmission and reception of a com- 
mon 4 PSK or ASK signal having no different digital levels. 

Fig.77 shows a time«base assignment of data components during physical two-level transmission of three 
different signal level data: e.g. NTSC, HDTV, and super HDTV or low resolution NTSC, standard resolution 
NTSC, and HDTV. For example, for transmission of three data components of low resolution NTSC, standard 
NTSC and HDTV, the low resolution NTSC or H L V L is allocated to the data domain 821 of D, signal. Also. H L V„, 
H L V L . and H M V M of the standard NTSC component are allocated to three domains 821a,821 b, 82 1c respectively. 
H L V^H. H H V U -H. and H H V„-H of the HDTV component are allocated to domains 823, 823a, and 823b respect- 
ively. 

The foregoing assignment is associated with such a logic level arrangement based on discrimination in 
the error correction capability as described in the second embodiment. More particularly. H U V L is carried on 
D,_, channel of the D t signal. The D,_, channel is higher in the error correction capability than D t _ 2 channel, 
as described in the second embodiment. The D,_, channel is higher in the redundancy but lower in the error 
rate than the D,_ 2 channel and the data 821 can be reconstructed at a lower C/N rate than that of the other 
data 821a.821b.821c More specifically, a low resolution NTSC component will be reproduced at a far location 
from the transmitter antenna or in a signal attenuating or shadow area. e.g. the interior of a vehide. In view of 
the error rate, the data 821 of D,_, channel is less affected by signal interference than the other data 
821a.821b.821c of D,_ 2 channel, while being specifically discriminated and staying in 'a different logic level, as 
described in the second embodiment Whae D, and Dj are divided into two physically different levels, the levels 
determined by discrimination of the distance between error correcting codes are arranged different in the logic 

level * 
The demodulation of data requires a higher C/N rate than that for D, data. In action. H U V L or low resoW 
ution NTSC signal can at least be reproduced in a distant or lowest C/N service area. H L V„,H„V U and H H V M 
can in addition be reproduced at a lower C/N area. Then, at a high C/N area. H^H, H H V U -H. and H h Vk-H 
components can aJso be reproduced to develop an HDTV signal. Accordingly, three different level broadcast 
signals can be played back. This method allows the signal receivable area shown in Fig.53 to increase from a 
double region to a triple region, as shown in Fig.90, thus ensuring higher opportunity for enjoying TV programs. 

Figs 78 is a block diagram of the third video decoder arranged for the time-base assignment of data shown 
in Fig.77, which is similar to that shown in Fig.72 except that the third input 551 for D 3 signal is eliminated and 
the arrangement shown in Fig.74-a is added. 

In operation, both the D, and D, signals are fed through two input units 521,530 respectrvely to a swrtch 
812 at the first timing. As their components including H L V L are time divided, they are transferred in a sequence 
by the switch 812 to an expander 503. Tnis sequence will now be explained referring to the ume-base assign- 
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ment or Fig.77. A compressed form of H L V L of the first channel is first fed to the expander 503 where it is expan- 
ded. Then, H^h. H M V l( and H H V„ are expanded. All the four expanded component's are sent through a switch 
812a to a mixer 556 where they are mixed to produce H L V L -H. H L V L -H is then fed back from the terminal 1 of 
a switch 765a through the input 2 of a switch 765 to the H L V L input of the mixer 556. 

5 At the second timing, H l Vk-H, H m V l -H, and H H V H of the Dj signal shown in Fig.77 are fed to the expander 

503 where they are expanded before transferred through the switch 821a to the mixer 556. They are mixed by 
the mixer 556 to an HDTV signal which is fed through the terminal 2 of the switch 765a to the output unit 521 
for further delivery. The time-base assignment of data components for transmission, shown in Fig.77, contri- 
butes to the simplest arrangement of the expander and mixer. Although Fig.77 shows two, D t and D 2 , signal 

10 levels, four-level transmission of a TV signal will be feasible using the addition of a D 3 signal and a super re- 
solution HDTV signal. 

Fig.79 illustrates a time-base assignment of data components of a physical three-level, D,, D 2( D 3 , TV sig- 
nal, in which data components of the same channel are so arranged as not to overlap with one another with 
time. Fig.80 is a block diagram of a modified video decoder 423, similar to Fig.78, in which a third input 521a 
is is added. The time-base assignment of data components shown in Fig.79 also contributes to the simple con- 
struction of the decoder. 

The action of the modified decoder 423 is almost identical to that shown in Fig.78 and associated with the . 
time-base assignment shown in Fig.77 and will no more be explained. It is also possible to multiplex data com- 
ponents on the D, signal as shown in Fig.81. However, two data 821 and 822 are increased higher in the error 

20 correction capability than other data components 821a.B12b.812c, thus staying at a higher signal level. More 
particularly, the data assignment for transmission is made in one physical level but two logic level relationship. 
Also, each data component of the second channel is inserted between two adjacent data components of the 
first channel so that serial processing can be executed at the receiver side and the same effects as of the ti- 
me-base assignment shown in Fig.79 will thus be obtained. ;• 

25 The time-base assignment of data components shown in Fig.81 is based on the logic level mode and can ' 
also be carried in the physical level mode when the bit transmission rate of the two data components 821 and 
822 is decreased to 1/2 or 1/3 thus to lower the error rate. The physical level arrangement is consisted of three 
different levels. 

Fig.82 is a block diagram of another modified video decoder 423 for decoding of the D, signal time-base 
30 arranged as shown in Fig.81, which is simpler in construction than that shown in Fig.80. Its action is identical 
to that of the decoder shown in Fig.80 and will be no more explained. 

As understood, the time-base assignment of data components shown in Fig.81 also contributes to the sim- 
ple arrangement of the expander and mixer. AJso. four data components of the D, signal are fed at respective 
time slices to a mixer 556. Hence, the circuitry arrangement of the mixer 556 or a plurality of circuit blocks such 
35 as provided in the video mixer 548 of Fig.32 may be arranged for changing the connection therebetween cor- 
responding to each data component so that they become compatible in time division action and thus, minimized 
in circuitry construction. 

Accordingly, the receiver can be minimized in the overall construction. 

It would be understood that the fifth embodiment is not limited to ASK modulation and the other methods 
■<o including PSK and QAM modulation, such as described in the first, second, and third embodiments, will be em- 
ployed with equal success. 

Also, FSK modulation will be eligible in any of the embodiments. For example, the signal points of a mul- 
tiple-level FSK signal consisting of four frequency components f1, f2,f3.f4 are divided into groups as shown in 
Fig.58 and when the distance between any two groups are spaced from each other for ease of discrimination. 
*s the multMeve! transmission of the FSK signal can be implemented, as illustrated in Ftg.83. 

More particularly, it is assumed that the frequency group 841 of M and f2 is assigned 0^=0 and the group 
842 of f3 and f4 is assigned D,=1. If f1 and f3 represent 0 at D 2 and f2 and f4 represent 1 at D 2 , two-bit data 
transmission, one bit at D, or D 3 , will be possible as shown in Fig.83. When the C/N rate is high, a combination 
of D,=0 and 02=1 is reconstructed at t=t3 and a combination of D,=1 and D 2 =0 at t=t4. When the C/N rate is 
50 low, D,=0 only is reproduced at t=t3 and D,=1 at t=t4. In this manner, the FSK signal can be transmitted in the 
multi-level arrangement. This multi-state FSK signal transmission is applicable to each of the third, fourth, and 
fifth embodiments. 

The fifth embodiment may also be implemented in the form of a magnetic record/playback apparatus of 
which block diagram shown in Fig. 84 because its ASK mode action is appropriate to magnetic record and play- 
55 back operation. 

As shown in Fig.84. an input video signal to a magnetic record/playback apparatus 851 is divided and com- 
pressed by a video encoder 401 . Then, a low frequency band component, e.g. H^, of the video signal is fed 
to a first data stream input 743 of an input unit 742 and a high frecuency band component including H H V H is 
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fed to . second data stream input 744 ol the same. The two components are further transferred to a modulator 
749 of a modulator/demodulator unit 852. Those procedures are almost identical to ti,o S e of the transm.tter774 
o h f*h embodiment shown in Fig.64. A modu.a.ed signal of the modulator 749 is fed through a record/play- 
b ll circuit 853 to a magnetic head 854 (or recording onto a magnetic tape 855. The record.ng procedure may 
be carried out by a physical multiple-level signal recording technique modified from a convenbonal dgrtal mui- 
ti-bit signal recording technique or a multi-level signal recording technique of phase modulation or phase am- 
Xde modulation described in the first or third embodiment separately. Aiso. muUMevel recording w.l. be 
possible using a multiple track of the magnetic tape or through varying the data transm.ss.on rate. Furthermore, 
togic multi-level recording will be possible by changing the error correction capab .ty for **«OTn"^ . 

In playback action, a reproduced signal retrieved from the magnebc tape 855 by the magnate head 854 
and reconstructed by the record/playback circuit 853 is fed to a demodulator 760 of the modulator/dernodulator 
unit 760. Then, the succeeding procedure is similar to that described in the first, flirt, or fourth embodmenL 
The first and second data streams D, . D, reconstructed by the demodulator 760 are than. converted i bj > a vjdao 
decoder 422 to a video signal. Thanking to the multi-level recording, a h,gh resolutjon TV signal e.g. of HDTV 
will be reproduced when the CM rate is high. If the C/N rate is low or a low-function magnebc player s used, 
a standard or lower NTSC TV signal only will be reproduced. 

As understood, the magnetic record/playback apparatus of the present invention allows atleas a low re- 
solution component of a TV signal to be reconstructed in case that the C/N rate is low or the error rate « lugh. 



Embodiment 6 



Asixth embodiment of the present invention wJI be described for execution of four-ievel video signal trans- 
mission.AcombhaUonofthefour-.evelsignal^^ 

a four-level signal service area as shown in Fig.91. The four-level serv,ce area.s consisted of, from .nnennost. 
a Z 890a a second 890b. a third 890c. and a fourth signal receiving area 890d. The method of developmg ; 
such a four-level service area will be explained in more detail. j.,.™.-.^ ' 

The four-level arrangement can be im P .emen.ed by using four phys.cally afferent levels determ.ned 
throuch modulation or four logic levels defined by data discrimination in the error correct™ capabJ.ty. The for- . 
mrptTdesa.argedifferencein.heCMratebetweentwoadjacen.levelsand.he 

to discriminate all the four levels from each other. The latter is based on the act.on of demodula ,on and a drf- 
eren™he CM rate between two adjacent levels should stay at minimum. Hence, the four-level arrangemen 

'"^ab^ 

405a 05b 405c.405d.The videodivider895contains three drviders404a.404b.404cwh,ch are arrangediden. 
Si to Te divide circuit 404 of .he firs, video encoder 401 shown in Fig.30 and will be no more explamed^An 
nou. vi^ Tna is divided by the driers into four components. W <>< low resolution data. H„V„ of h,gh 

hotoLT iTd vertical, data of me .ow frequency component W is further divided by the , 
S... .?. — HhV^H b fed to the dtvidet 4Wb where it Is drrifled ageet (out cony 
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divider 404b have 750 to 1000 lines of a horizontal and a vertical resolution and are mixed by a mixer 772b to 
an HH signal which is then compressed by the compressor 405d and delivered as a Om signal. After com- 
pression, the HL signal is delivered as a D__, signal. As the result. LI or D u , carries a frequency data of 0 to 
250 lines, LH or D,_ 2 carries a frequency data from more than 250 lines up to 500 lines, HL or Dj. t carries a 
frequency data of more than 500 lines up to 750 lines, and HH or D 2 _ 2 carries a frequency data of more than 
750 lines to 1000 lines so that the divider circuit 3 can produce a four-level signal. Accordingly, when the divider 
circuit 3 of the transmitter 1 shown in Fig.87 is replaced with the divider circuit of Fig.93, the transmission of a 
four-level signal will be implemented. 

The combination of multi-level data and multi-level transmission allows a video signal to be at steps dec- 
lined in the picture quality in proportion to the C/N rate during transmission., thus contributing to the enlargement 
of the TV broadcast service area. At the receiver side, the action of demodulation and reconstruction is identical 
to that of the second receiver of the second embodiment shown in Fig.88 and will be no more explained. In 
particular, the mixer 37 is modified for video signal transmission rather than data communications and will now 
be explained in more detail. • 

As described in the second embodiment, a received signal after demodulated and error corrected, is fed 
as a set of four components D 1 „,,D I _ 2 ,D 2 . 1 .D M to the rnbcer 37 of the second receiver 33 of Fig.88. 

Fig.97 is a block diagram of a modified mixer 33 in which D l . 1 ,D 1 . a ,D 2 . 1 ,D M are expanded by their res- 
pective expanders 523a,523b,523c,523d to an LL_ an LH. an HL, and HH signal respectively which are equiv- 
alent to those described with Fig.93. If the bandwidth of the input signal is 1, LL has a bandwidth of 1/4, LL+LH 
has a bandwidth of 1/2, LL+LH+HL has a bandwidth of 3/4, and LL+LH+HL+HH has a bandwidth of 1. The LH 
signal is then divided by a divider 531a and mixed by a video mixer 548a with the LL signal. An output of the 
video mixer 548a is transferred to an H L V l terminal of a video mixer 548c. The video mixer 531a is identical to 
that of the second decoder 527 of Fig.32 and will be no more explained. Also, the HH signal is divided by a 
divider 531b and fed to a video mixer 548b. At the video mixer 548b, the HH signal is mixed with the HL signal ' 
to an H h Vh-H signal which is then divided by a divider 531c and sent to the video mixer 548c. At the video rnbcer 
548c, H h Vh-H is combined with the sum signal of LH and LL to a video outpuL The video output of the rnbcer 
33 is then transferred to the output unit 36 of the second receiver shown in Fig.88 where it is converted to a 
TV signal for delivery. If the original signal has 1050 lines of vertical resolution or is an HDTV signal of about 
1000-line resolution, its four different signal level components can be intercepted in their respective signal re- 
ceiving areas shown in Fig.91. 

The picture quality of the four different components will be described in more detail. The illustration of Fig.92 
represents a combination of Figs.BS and 91. As apparent, when the C/N rate increases, the overall signaj level 
or amount of data is increased from 862d to 862a by steps of four signal levels D 1 _,,D t _ 2 ,D 3 _,.D 2 . > 

AJso, as shown in Fig.95, the four different level components LU LH. HL and HH are accumulated in pro- 
portion to the C/N rate. More specifically, the quality of a reproduced picture will be increased as the distance 
from a transmitter antenna becomes small. When L=Ld, LL component is reproduced. When L=Lc. LL+LH signal 
is reproduced. When L=U>, LL+LH+HL signal is reproduced. When L=La, LL+LH+HL+HH signal is reproduced. 
As the result, if the bandwidth of the original signal is 1, the picture quality is enhanced at 1/4 increments of 
bandwidth from 1/4 to 1 depending on the receiving area. If the original signal is an HDTV of 1000-line vertical 
resolution, a reproduced TV signal is 250. 500, 750, and 1000 lines in the resolution at their respective receiving 
areas. The picture quality will thus be varied at steps depending on the level of a signal. Fig.96 shows the signal 
propagation of a conventional digital HDTV signal transmission system, in which no signal reproduction wfll be 
possible when the C/N rate is less than Vo. Also, signal interception will hardly be guaranteed at signal inter- 
ference regions, shadow regions, and other signal attenuating regions, denoted by the symbol x, of the service 
area. Fig.97 shows the signal propagation of an HDTV signal transmission system of the present invention. As 
shown, the picture quality will be a full 1000-line grade at the distance La where C/N=a. a 750-line grade at the 
distance Lb where C/N=b, a 500-line grade at the distance Lc where C/N=c. and a 250-line grade at the distance 
Ld where C/N=d. Within the distance La. there are some unfavorable regions where the CN rate drops sharply 
and no HDTV quality picture will be reproduced. As understood, a lower picture quality signal can however be 
intercepted and reproduced according to the multi-level signal transmission system of the present invention. 
For example, the picture quality will be a 750-line grade at the point B in a building shadow area, a 250-line 
grade at the point D in a running train, a 750-line grade at the point F in a ghost developing area, a 250-line 
grade at the point G in a running car, and a 250-line grade at the point L in a neighbor signal interference area./ 
As set forth above, the signal transmission system of the present invention allows a TV signal to be successfully 
received at a grade in the area where the conventional system is poorly qualified, thus increasing its service 
area. Fig.98 shows an example of simultaneous broadcasting of four different TV programs, in which three qual- 
ity programs C.B.A are transmitted on their respective channels P1_j.D2-t.Dj_j while a program D identical to 



31 



EP 0 506 400 A2 



that of a local analog TV station is propagated on the D,_. channel. Accordingly, while the program D is kept 
available at simulcast service, the other three programs can also be distributed on air for oflenng a multiple 
program broadcast service. 

In the above embodiments, the low and high frequency band components are transmuted as the first and 
second data sreams. However, the transmitted signal may be an audio signal. In this case, low frequency or 
low resolution components of an audio signal may be transmitted as the first data stream, and high frequency 
or high resolution components of the audio signal may be transmitted as the second data stream. Accordingly. 
H is possible to receive high ON portion in high sound quality, and low C/N portion in low sound quality. Tim 
can be utilized in PCM broadcast, radio portable telephone and the like. In this case, the broadcasting area or 
communication distance can be expanded as compared with the conventional systems. 

The multi-level signal transmission method of the embodiment is intended to increase the utilrzabon of fre- 
quencies but may be suited for not all the transmission systems since causing some type receivers to be de- 
dined in the energy utilization. It is a good idea for use with a satellite communications system for selected 
subscribers to employ most advanced transmitters and receivers designed for best utilization fre- 
quencies and energy. Such a specific purpose signal transmission system will not be bound by the present 

'""ThTpresent inve nbon will be advantageous for use with a satellite or terrestrial broadcast service which 
is essential to run in the same standards for as long as 50 years. During the service period, the broadcast stan- 
dards must not be altered but improvements will be provided time to time corresponding to up-to-date 
technological achievements. Particularly, the energy for signal transmission will surely be increased on any 
satellite Each TV station should provide a compatible service for guaranteeing TV program signal reception 
to any type receivers ranging from today's common ones to future advanced ones. The signal ^mission 
system of the present invention can provide a compatible broadcast service of both the exotng NTSC and 
HDTV systems and also, ensure a future extension to match mass data transmission. 

The present invention concerns much on the frequency utilization than the energy utilization. The s.gnal 
receiving sensitivity of each receiver is arranged different depending on a signal state level to be receive. so 
that the transmitting power of a transmitter needs not to be increased largely. Hence, existing sate hies which 
offer a small energy for reception and transmission of a signal can best be used with the system of the present 
invention. The system is also arranged for performing the same standards corresponding to an mcrease m the 
transmission energy in the future and offering the compatibility between old and new type receivers. In addition, 
the present invention will be more advantageous for use with the satellite broadcast standards. 

The multi-level signal transmission method of the present invention is more preferably employed for ter- 
restrial TV broadcast service in which the energy utilization is not crucial, as compared with satellite broadcast 
service. The results are such that the signal attenuating regions in a service area which are attnbuted to a con- 
ventional digital HDTV broadcast system are considerably reduced in extension and also, the compaubOity of 
an HDTV receiver or display with the existing NTSC system is obtained. Furthermore, the serv.ce area is sub- 
stantially increased so that program suppliers and sponsors can appreciate more viewers. Although the embo- 
diments of the present invention refer to 16 and 32 QAM procedures, other modulation techniques indud.no 
M 128, and 256 QAM wi.l be employed with equal success. Also, multiple PSK. ASK. and FSK techniques 
will be applicable as described with the embodiments. 

A combination of the TDM with the SRQAM of the present invention has been descnbed in the above. How- 
ever, the SRQAM of the present invention can be combined also with any of the FDM. CDMA and frequency 
dispersal communications systems. 



Claims 



A signal transmission system comprising: m-,, ,„k 

a modulatory producing msignal points, where m is an integer, in a signal space diagram through 
modulation of a carrier wave using an Input signal; and . 

a transmKter for transmitting a modulated signal, in which the mam P™'™"*^'™™* 
the input signal containing a tat data stream of n values and a second data stream. drvidrng the , m ^signal 
points into n signal point groups, assigning n values of me first data stream to the n signal point groups 
respectively, and assign^ data of the second data stream to the skjnal points of each signal pomt group. 

A signal transmission system according to Claim 1. wherein the first and second data streams are two. 
low and high, frequency band components of a video or audio signal respectively. 
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3. A signal transmission system according to Claim 1 , wherein during transmission and reception of both the 
first and second data streams of the signal, the second data stream can be canceled transmission or re- 
ception when the error rate at transmission becomes high white the first data stream continues to be trans- 
mitted. 

4. A signal transmission system according to Claim 1 , wherein the signal points are shifted to other positions 
in the signal space diagram so that one of them which is located at a nearest position to the origin point 
of the l-axis and Q-axis coordinates of the diagram, is spaced SS from each axis where 6 is the distance 
between the nearest signal point and the I- or Q-axis and S is the length of shift which is more than 1. 

5. A signal transmission system comprising; 

a demodulator for demodulating a received QAM signal representing P signal points in a signal 
space diagram; and 

an output, in which the main procedure includes dividing the P signal points into n signal point 
groups, demodulating a first data stream of which n values are assigned to the n signal point groups, and 
demodulating a second data stream of which P/n values are assigned to P/n signal points of each signal 
point group for reconstruction of data of the first and second data streams. 

6. A signal transmission system according to Claim 5, wherein the first and second data streams represent 
two, low and high, frequency band components of a video signal respectively. 

7. A signal transmission system according to Claim 5, wherein during reception of both the first and second 
data streams of the signal, the second data stream can be canceled when the error rate becomes high 
while the first data stream continues to be intercepted. 

8. A signal transmission system according to Claim 5, further comprising a carrier wave reproducer in which 
a carrier wave is reproduced from the received signal by 16x multiplication of a frequency of the received 
signal. 

9. A signal transmission system according to Claim 5, wherein the signal points of QAM are shifted to other 
positions in the signal space diagram so that one of them which is located at a nearest position to the origin 
point of the l-axis and Q-axis coordinates of the diagram, is spaced S5 from each axis where 5 is the dis- 
tance between the nearest signal point and the I- or Q-axis and S is the length of shift which is more than 

1- 

10. A signal transmission system comprising: 

a transmitter having a signal input circuit, a modulator circuit for producing m signal points in a signal 
space diagram through modulation of a earner wave using an input signal fed from the signal input circuit, 
and a transmitter circuit for transmitting a modulated signal, in which a main procedure includes receiving 
the input signal containing a first data stream of n values and a second data stream, dividing the m signal 
points into n signal point groups, assigning n values of the first data stream to the n signal point groups 
respectively, and assigning data of the second data stream to the signal points of each signal point group; 
and 

a receiver having an input circuit for reception of the modulated signal from the transmitter, a de- 
modulator circuit for demodulating a QAM modulated signal representing P signal points in a signal space 
diagram, and an output circuit, in which the main procedure includes dividing the P signal points into signal 
point groups, demodulating the first data stream of which n values are assigned to the n signal point groups, 
and demodulating the second data stream of which P/n values are assigned to P/n signal points of each 
signal point group for reconstruction of data of the first and second data streams. 

11. A signal transmission system according to Claim 10, wherein the first and second data streams represent 
two, low and high, frequency band components of a video signal respectively. 

12. A signal transmission system according to Claim 10, wherein the signal points of QAM are shifted to other 
positions in the signal space diagram so that one of them which is located at a nearest position to the origin 
point of the l-axis and Q-axis coordinates of the diagram, is spaced SS from each axis where 6 is the dis- 
tance between the nearest signal point and the I- or Q-axis and S is the length of shift which is more than 
1. 



33 



13. A signal transmission system comprising: 

a modulating means for modulating a carrier wave with an input signal to produce m signal points, 
where m is an integer, on a signal space diagram; 

transmitting means for transmitting the modulated signal; and 

means for changing or modulating positions of the signal points with a part of the input signal. 
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